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Abstract—Inter-user interference (IUI) mitigation has been
an essential issue for multi-user multiple-input multiple-output
(MU-MIMO) communications. The commonly used linear pro-
cessing schemes include the maximum-ratio combining (MRC),
zero-forcing (ZF) and minimum mean squared error (MMSE)
beamforming, which may result in the unfavorable performance
or complexity as the antenna number grows. In this paper,
we introduce a low-complexity linear beamforming solution for
the IUI mitigation by using the convolutional beamspace (CBS)
technique. Specifically, the dimension of channel matrix can
be significantly reduced via the CBS preprocessing, thanks to
its beamspace and spatial filtering effects. However, existing
methods of the spatial filter design mainly benefit from the
Vandermonde structure of channel matrix, which only holds
for the far-field scenario with the uniform plane wave (UPW)
model. As the antenna size increases, this characteristic may
vanish in the near-field region of the array, where the uniform
spherical wave (USW) propagation becomes dominant. To gain
useful insights, we first investigate the beamforming design and
performance analysis of the CBS-based beamforming based on
the UPW model. Our results unveil that the proposed CBS-
based MMSE beamforming is able to achieve a near-optimal
performance but demands remarkably lower complexity than
classical ZF and MMSE schemes. Furthermore, our analysis
is also extended to the near-field case. To this end, a novel
optimization-based CBS approach is proposed for preserving
spatial filtering effects, thus rendering the compatibility of the
CBS-based beamforming. Finally, numerical results are provided
to demonstrate the effectiveness of our proposed CBS-based
beamforming method.

Index Terms—Convolutional beamspace, MU-MIMO, IUI mit-
igation, near-/far-field.

I. INTRODUCTION

Multi-user multiple-input multiple-output (MU-MIMO) is a
key technique to significantly enhance the system throughput
of wireless communication networks, thanks to its diversity
and multiplexing gains brought by multiple antennas and
multiple users [1]–[4]. To fully reap potentials of MU-MIMO
systems, different users may share the same channel resource,
leading to the inter-user interference (IUI). In particular, severe
IUI may largely degrade the communication performance.
Thus, one central problem for MU-MIMO is to mitigate the
IUI efficiently with excellent complexity/performance trade-
offs [3]. Besides, MU-MIMO communications also require
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the accurate channel state information (CSI) to completely
eliminate the IUI, which is mainly achieved by the channel
estimation [5], [6]. However, both the overheads of the channel
estimation and computational complexity for the IUI suppres-
sion are significant, especially when the antenna size becomes
large and massive user access is allowed.

Numerous efforts have been devoted to addressing the IUI
issue for MU-MIMO systems since the advent of multiple-
input multiple-output (MIMO) technology [3]. For the early
MIMO system, simple linear processing techniques only in-
corporate the zero forcing (ZF) and minimum mean squared
error (MMSE) [2], [7]. Otherwise, some complicated nonlinear
approaches are required, such as the maximum-likelihood
multi-user detection [8] and “dirty paper” coding [9], [10].
As the MIMO technology gradually evolved towards the
massive MIMO, typical antenna number at the base station
(BS) increases to 64 or 128 [11], [12]. Benefited by such a
boost in the antenna number, the most basic linear maximum-
ratio combining (MRC) is able to achieve effective MU-MIMO
communications with the suppressed IUI, thanks to approxi-
mately orthogonal channels between the BS and users [13]–
[15]. Looking forward to the sixth-generation (6G) mobile
communication networks, extremely large-scale multiple-input
multiple-output (XL-MIMO) has been recognized as a promis-
ing technology to exceedingly improve the communication
and sensing performance [16]–[19]. Specifically, super high
beamforming gain and spatial resolution are perceived to be
realized with the XL-MIMO, owing to its significant advance
in the number of array elements, e.g., several hundreds or even
thousands of antennas [16]. Moreover, larger array aperture
also renders conventional uniform plane wave (UPW) model
invalid, and more accurate uniform spherical wave (USW)
propagation needs to be considered. Note that such a new char-
acteristic is in fact beneficial to MU-MIMO communications
since it can not only enable more users to access the BS, but
also provide a new degree of freedom (DoF) to suppress the
IUI by the distance separation [20]. However, different from
the multi-user massive MIMO, the performance of MRC in the
XL-MIMO system may deteriorate because users are spatially
correlated in both the angle and distance. Although ZF and
MMSE techniques can exhibit superior effects, the sharp
increase in both the array size and user number may cause
super high complexity of calculating the matrix inversion [21].

There have been extensive works on investigating various
linear methods to pursue the desirable complexity reduction.
In particular, the beamspace processing has been regarded as
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an effective way in the array signal processing by transforming
the original signal space into a subspace with lower dimension
[22]–[25]. Besides, such a concept has been widely studied in
the beamspace MIMO for multi-user communications, such
as the channel modeling [26], [27], channel estimation [28],
[29], and beam selection [30], [31]. Furthermore, convolu-
tional beamspace (CBS) has recently emerged as a novel
beamspace technique [32]–[34]. Unlike the commonly used
discrete Fourier transform (DFT)-based beamspace in the
existing literature, the CBS is able to preserve the Vander-
monde structure of array outputs, which is thus convenient
for subsequent operations. Note that such a distinct property
has been initially leveraged for both the localization and
channel estimation. On the one hand, several subspace-based
super-resolution algorithms, such as mutiple signal classifi-
cation (MUSIC) [35] and root-MUSIC [36] can be directly
performed for the high-resolution direction of arrival (DoA)
estimation [32]. On the other hand, the channel estimation
can be achieved in a low-complexity manner, since such an
issue can be transformed into a problem similar to the DoA
estimation, especially in millimeter wave (mmWave) scenarios
[37]. Another important property of the CBS transformation
is that original array outputs will be equivalently convolved
with taps of a spatial domain digital filter, e.g., finite impulse
response (FIR) or infinite impulse response (IIR) [38], thus
yielding spatial filtering effects. Consequently, interference
targets in the DoA estimation will be partially filtered, which
is in general beneficial to both the estimation accuracy and
computational complexity. Inspired by this, the CBS can also
be exploited as a preprocessing step to assist the IUI mitigation
for MU-MIMO communications, which also owns a similar
formulation with the DoA estimation. Specifically, interference
signals from different users can be first weakened via the
spatial filtering of the CBS, which can significantly simplify
the subsequent IUI suppression. Moreover, given that the
Vandermonde structure of array outputs is still maintained,
it is easy to carry out classical linear processing schemes, i.e.,
MRC, ZF and MMSE, based on the dimension-reduced matrix.

It is worth mentioning that the existing literature on CBS
mainly focuses on the conventional far-field UPW model.
Intuitively, the ability to alleviate the IUI via the CBS tech-
nique can be enhanced as the array aperture becomes larger.
This is expected since the spatial filtering performance of the
CBS significantly depends on the spatial domain digital filter’s
length, which has to be smaller than the element number of
the array [32]. Specifically, longer filter’s length is required
to filter more interference signals or bring larger attenuation
for interference targets. Hence, to achieve more desirable IUI
mitigation, the array size is likely to increase by at least an
order of magnitude, corresponding to the XL-MIMO, such that
the near-field USW model cannot be neglected. In this case,
the useful Vandermonde structure of array outputs may vanish
by taking into account spherical wavefronts, thus rendering
classical tools for designing the digital filter no longer valid.
However, such an issue with the “filter-like” structure can still
be addressed by formulating an optimization problem, which
aims at minimizing the IUI and obtaining an optimal CBS
filter [39].

Therefore, we study in this paper the low-complexity CBS-
based beamforming scheme in MU-MIMO communications
using the extremely large-scale array, where both the far-field
UPW and near-field USW models are investigated. The main
contributions of this paper are summarized as follows.

• Firstly, classical linear beamforming schemes including
MRC, ZF and MMSE are introduced based on the
generic near-field modeling for MU-MIMO communi-
cations. To gain useful insights, the CBS preprocessing
is first applied to MU-MIMO systems with the far-field
UPW approximation. Furthermore, the CBS-based MRC
beamforming is proposed, where trade-offs between its
performance of the IUI mitigation and beamforming
gain are revealed based on the equivalent beam pattern.
Specifically, obtaining better IUI mitigating effects may
sacrifice the beamforming gain of the whole array. Be-
sides, the corresponding complexity analysis of the CBS-
based MRC beamforming is provided by comparison with
classical MRC, ZF and MMSE schemes. It is shown that
the CBS-based MRC beamforming can outperform afore-
mentioned linear schemes in terms of the performance or
complexity.

• Next, the CBS-based MMSE beamforming is proposed,
which aims at lowering the unfavorable complexity of
the classical MMSE scheme by filtering the majority of
interference users. It is shown that the CBS-based MMSE
beamforming achieves a near-optimal performance with
lower complexity. Furthermore, the array decimation is
utilized to further reduce the computational complexity
since only few users will be maintained with the aid of
the CBS preprocessing. In particular, larger decimated
length may result in smaller complexity by losing the
performance of the IUI suppression. Besides, the afore-
mentioned beamforming is mainly performed under the
non-white noise brought by the CBS. Hence, the impact
of the noise whitening is also investigated in both the
additional complexity and beamforming design.

• Lastly, the CBS-based beamforming is extended to the
near-field case, where users may be located in the near-
field region of the array. To gain more insights into the
beamforming design, the second-order Taylor approxima-
tion is considered when characterizing the phase term
in the channel modeling. To resolve optimal near-field
filtering coefficients, we first introduce a metric for each
user, termed post-CBS vector, whose Euclidean norm
accounts for its signal intensity. Then, an optimization
problem is formulated based on the designed passband,
stopband and transition band. Furthermore, such an issue
can be transformed into a basic convex problem by us-
ing slack variables and successive convex approximation
(SCA). Numerical results are presented to demonstrate
the effectiveness of our proposed beamforming method.

The rest of this paper is organized as follows. Section II in-
troduces the near-field modeling for MU-MIMO communica-
tions and presents three classical linear beamforming schemes.
In Section III, the CBS preprocessing is presented based on the
far-field model and the CBS-based MRC beamforming is then
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Fig. 1. Multi-user communication with a ULA.

proposed. Furthermore, Section IV analyzes the CBS-based
MMSE beamforming scheme. We then extend the CBS-based
beamforming into the near-field case in Section V. Numerical
results are provided in Section VI. Finally, we conclude this
paper in Section VII.

Notations: CM×N denotes the space of M × N complex-
valued matrices. For a vector z, ∥z∥ and [z]i represent its
Euclidean norm and i-th element, respectively. For a complex
number x, |x| denotes it absolute value. ⌈·⌉ refers to the
ceil operation for the real number. \ is the set minus oper-
ation. CN (0,Σ) is the distribution of a circularly symmetric
complex Gaussian (CSCG) random vector with mean 0 and
covariance matrix Σ. E [·] denotes the statistical expectation.

II. SYSTEM MODEL

As shown in Fig. 1, we consider an uplink communication
system, where the BS serves K single-antenna users. More-
over, the BS is equipped with a uniform linear array (ULA)
with N antenna elements. The separation between adjacent an-
tenna elements is denoted by d. Without loss of generality, the
ULA is placed along the y-axis and centered at the origin. For
notational convenience, we assume that N is an odd number.
Therefore, the location of the n-th array element is denoted by
wn = [0, nd]

T , where n = 0,±1, · · · ,± (N − 1) /2. Denote
the distance between the i-th user and the array center as
ri, 1 ≤ i ≤ K, and the location of user i is thus given by
qi = [ri cos θi, ri sin θi]

T , where θi ∈
[
−π

2 ,
π
2

]
denotes the

direction of qi when viewed from the origin. Based on this,
the distance between user i and the n-th array element can be
expressed as

ri,n = ∥qi −wn∥ = ri

√
1− 2nεi sin θi + n2ε2i , (1)

where εi ≜ d
ri

. Note that in practice, we have εi ≪ 1. The
n-th entry of the N -element array response vector aN (ri, θi)
for user i is modeled as [16]

[aN (ri, θi)]n =

√
β0

ri,n
e−j

2π
λ ri,n , (2)

where β0 denotes the channel gain at the reference distance
of 1 m and λ is the signal wavelength. Furthermore, the line-
of-sight (LoS) channel matrix considering all the K users can
be expressed as

ALoS = [aN (r1, θ1) , · · · ,aN (rK , θK)] . (3)

We also consider the multi-path propagation with Q scat-
terers, and the location of the q-th scatterer is then denoted by
pq = [r̃q cos θ̃q, r̃q sin θ̃q]

T . Note that r̃q and θ̃q account for
the distance between the q-th scatterer and the array center,
and the direction of pq with respect to the origin, respectively.
Thus, the non-line-of-sight (NLoS) array response vector for
user i can be expressed as

aNLoS
N (ri, θi) =

Q∑
q=1

βq,ibN

(
r̃q, θ̃q

)
e−j

2π
λ ∥pq−qi∥, (4)

where βq,i denotes the complex-valued gain of the q-th NLoS
link for user i, which includes both the path loss and ran-
dom scattering coefficient. Besides, the array response vector
between the q-th scatterer and BS is[

bN

(
r̃q, θ̃q

)]
n
=

√
β0

∥pq −wn∥
e−j

2π
λ ∥pq−wn∥. (5)

Similarly, the NLoS channel matrix is given by

ANLoS =
[
aNLoS
N (r1, θ1) , · · · ,aNLoS

N (rK , θK)
]
. (6)

Thus, the received signal at the BS can be expressed as

y = Ax+ n

=

K∑
i=1

[
aN (ri, θi) + ξaNLoS

N (ri, θi)
]√

Pixi + n,
(7)

where A ≜ ALoS + ξANLoS denotes the multi-path near-field
channel matrix with ξ ∈ {0, 1} determining the existence of
NLoS components, and x = [

√
P1x1,

√
P2x2, · · · ,

√
PKxK ]T

is the transmit signal with Pi and xi representing the transmit
power and the information-bearing symbol of user i, respec-
tively. Besides, n ∈ CN×1 ∼ CN

(
0, σ2IN

)
is the additive

white Gaussian noise (AWGN) with σ2 denoting its variance.
For convenience, we first consider the basic LoS-dominated

channel, i.e., ξ = 0. In this case, to obtain the signal of user
k, a linear receive beamforming vector vk ∈ CN×1 is used,
which satisfies ∥vk∥ = 1. Therefore, the received signal at
user k can be further written as [20]

yk = vHk aN (rk, θk)
√
Pkxk

+

K∑
i=1,i̸=k

vHk aN (ri, θi)
√
Pixi + vHk n,

(8)

and its received signal-to-interference-plus-noise ratio (SINR)
is given by

γk =
P̄k
∣∣vHk aN (rk, θk)

∣∣2
1 +

∑K
i=1,i̸=k P̄i

∣∣vHk aN (ri, θi)
∣∣2 , (9)
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Fig. 2. Illustrations for CBS-based beamforming versus classical linear beamforming schemes.

where P̄i ≜ Pi

σ2 refers to the transmit signal-to-noise ra-
tio (SNR) for user i. Thus, the achievable sum rate in
bits/second/Hz (bps/Hz) is

Rsum =

K∑
k=1

log2 (1 + γk) . (10)

Next, classical linear beamforming schemes for multi-user
communications will be introduced based on (8). Specifically,
commonly used linear methods include MRC, ZF and MMSE
beamforming, which are listed as follows [14]:

• MRC beamforming: The receive beamforming matrix is

BMRC = AH . (11)

The linear beamforming vector for user k can be obtained
as

vMRC,k =
aN (rk, θk)

∥aN (rk, θk)∥
. (12)

Note that the beam pattern of vMRC,k with respect to an
arbitrary observation location (r, θ) can be expressed as

fkMRC (r, θ) =
1√
N

∣∣vHMRC,k (rk, θk)aN (r, θ)
∣∣ . (13)

• MMSE beamforming: The receive beamforming matrix
is

BMMSE =
(
AHA+ P̄−1

)−1
AH . (14)

where P̄ ≜ diag
(
P̄1, · · · , P̄K

)
. Note that the ZF beam-

forming can be regarded as a special case of the MMSE
by letting P̄1, · · · , P̄K → ∞, thus omitted for brevity
here. Besides, the linear MMSE beamforming vector for
user k can be obtained as [20]

vMMSE,k =
C−1
k aN (rk, θk)∥∥C−1
k aN (rk, θk)

∥∥ , (15)

where Ck ≜
∑K
i=1,i̸=k P̄iaN (ri, θi)aN (ri, θi)

H
+ IN

denotes the interference-plus-noise covariance matrix.

It is worth mentioning that the MRC beamforming is easy
to implement, while its performance of the IUI suppression
significantly depends on the antenna number N . By contrast,
ZF and MMSE beamforming schemes tend to exhibit superior
outcomes by losing the receive SNR [20], as well as increasing
the computational complexity, which is related to the user
number K. Based on beamforming matrices given by (11) and
(14), it can be observed that the complexity of performing the
MRC beamforming is O{KN}, while the complexity of using
the ZF or MMSE is O

{
K2N +K3 +KN +K2

}
. Thus, ZF

and MMSE beamforming schemes may require a significant
amount of computational resources when the user number K
becomes very large.

III. CBS-BASED BEAMFORMING

Unlike classical linear beamforming schemes, where the
target user’s signal is directly processed by applying the
MRC/ZF/MMSE, we use the CBS technique to first prepro-
cess the received signal y in (7), then followed by classical
linear beamforming schemes, as shown in Fig. 2. It will be
subsequently shown that the dimension of equivalent channel
matrix can be obviously reduced. Besides, the CSI is indeed
not required for the CBS preprocessing since the matrix Hc

in Fig. 2 can be designed in advance. Hence, the cost of both
the channel estimation and beamforming design is expected
to be significantly lowered owing to the dimension reduction.
To clearly illustrate such potentials, we first consider the far-
field case, where the distance in (1) can be approximated as
ri,n ≈ ri (1− nεi sin θi) by utilizing the first-order Taylor
expansion. As such, the array response vector for user i in (2)
can be simplified as

[aN (ri, θi)]n ≈ [aN (ωi)]n =

√
β0
ri

e−j
2π
λ riejnωi , (17)

where ωi ≜ 2π
λ d sin θi can be interpreted as the spatial

frequency corresponding to the incident angle θi. In this case,
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Hc =


hc(L− 1) . . . hc(0) 0 · · · 0

0 hc(L− 1) · · · hc(0) · · · 0
...

...
. . .

...
. . .

...
0 0 · · · hc(L− 1) · · · hc(0)


(N−L+1)×N

. (16)

the LoS channel component given by (3) becomes a common
Vandermonde matrix. By further assuming the half-wavelength
antenna spacing, i.e., d = λ

2 , we can obtain ωi = π sin θi.

A. CBS preprocessing

The CBS preprocessing attempts to achieve the suppression
of undesired signals, by convolving the received signal vector
y with a spatial domain FIR filter hc (l), 0 ≤ l ≤ L− 1, with
L denoting the length of the filter [32]. In fact, the output of
the CBS preprocessing can also be expressed as multiplying
the received signal y by a (N −L+ 1)×N banded Toeplitz
matrix Hc, given by (16) shown at the top of this page. Thus,
the output signal can be expressed as

yc = Hcy = HcAx+Hcn

=

K∑
i=1

HcaN (ωi)
√
Pixi +Hcn,

(18)

which can be further expanded as (19), shown at the top of
the next page. Note that Hc

(
ejω
)
=
∑L−1
l=0 hc (l) e

−jωl in
(19) denotes the spatial frequency response of the filter hc (l),
and aN−L+1 (ωi) is the first N −L+1 elements of the array
response vector aN (ωi). In particular, if ωi lies in the stopband
of the filter Hc

(
ejω
)
, we have

∣∣Hc

(
ejωi

)∣∣ ≈ 0. According to
(19), the resulting signal yc incorporates the user k’s signal,
interference signals and noise. Thus, for user k, the most ideal
case is that all the interference signals can be filtered, i.e.,∣∣Hc

(
ejωi

)∣∣ → 0 for i ̸= k, and its own signal is perfectly
remained, i.e.,

∣∣Hc

(
ejωk

)∣∣→ 1.

B. MRC beamforming

It can be observed that the MRC beamforming can still
be used to obtain the target signal in (19). Compared with the
classical MRC (11), the only difference is that the correspond-
ing beamforming matrix needs to be modified as

Bc,MRC = UH , (20)

where U ≜ HcA.
Besides, the linear CBS-based MRC beamforming vector

for user k can be expressed as

vc,MRC,k =
ej(L−1)ωkHc

(
ejωk

)
aN−L+1 (ωk)∥∥ej(L−1)ωkHc (ejωk)aN−L+1 (ωk)

∥∥ . (21)

Note that for the CBS-based MRC beamforming, the most
ideal filter Hc

(
ejω
)

can not only retain the signal from user
k without any power loss, but also reject the IUI efficiently.
On the other hand, due to the transformation from aN (ωk) to
aN−L+1 (ωk), the maximum beamforming gain of the system
will be reduced from N to (N − L+ 1). In particular, an ideal

filter, owning the narrower transition band and higher stopband
attenuation, requires very large L. For the extreme case with
L = N , the maximum beamforming gain will reduce to 1.
Therefore, how to design a spatial FIR filter with appropriate
length is a critical problem for the CBS-based beamforming.

The output of the CBS-based MRC beamforming can be
written as

yc,k = vHc,MRC,kHcaN (ωk)
√
Pkxk

+

K∑
i=1,i̸=k

vHc,MRC,kHcaN (ωi)
√
Pixi + vHc,MRC,kHcn.

(22)
where the power of the resulting noise nc ≜ vHc,MRC,kHcn is
given by 1

Rnc
= E

[
ncn

H
c

]
= σ2vHc,MRC,kHcH

H
c vc,MRC,k. (23)

Furthermore, the SINR of the CBS-based MRC beamform-
ing can be expressed as (24), shown at the top of the next
page. Based on (24), the equivalent beam pattern of vc,MRC,k
with an arbitrary observation frequency ω can be obtained as

fkCBS (ω) =

∣∣∣∣vHc,MRC,kaN−L+1 (ω)
Hc(ejω)
Hc(ejωk)

∣∣∣∣
∥vc,MRC,k∥ ∥aN−L+1 (ω)∥

=

∣∣∣vHc,MRC,kaN−L+1 (ω)
∣∣∣

√
N − L+ 1︸ ︷︷ ︸

MRC beam pattern

·

∣∣∣∣∣ Hc

(
ejω
)

Hc (ejωk)

∣∣∣∣∣︸ ︷︷ ︸
filtering effect

.

(25)

For the conventional MRC beamforming (13), its beam pattern
under the far-field UPW model is

fkMRC (θ) =
1√
N

∣∣vHMRC,k (θk)aN (θ)
∣∣ . (26)

Therefore, it can be observed that the equivalent beam pattern
of vc,MRC,k (25) incorporates the beam pattern of the conven-
tional MRC with N − L + 1 array elements in (26), as well
as the spatial amplitude-frequency response of the FIR filter.

Fig. 3 plots the equivalent beam patterns of the CBS-based
MRC beamforming, where the filter length is set as L = 30
and L = 64, respectively. The beam patterns of conventional
MRC beamforming are also shown based on the identical array
with N = 65. Note that the passband of the spatial FIR filter is
designed as ω ∈ [0.4π, 0.6π]. Compared with the conventional
MRC shown in Fig. 3(a), the side lobes of the equivalent beam
pattern with respect to the CBS-based MRC beamforming can
be significantly suppressed. As a trade-off, the main lobe of the
CBS-based MRC beamforming becomes wide. Furthermore, it

1The noise whitening is not taken into account here, which will be
subsequently clarified in detail
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yc = ej(L−1)ωkHc

(
ejωk

)
aN−L+1 (ωk)

√
Pkxk︸ ︷︷ ︸

user k’s signal

+

K∑
i=1,i̸=k

ej(L−1)ωiHc

(
ejωi

)
aN−L+1 (ωi)

√
Pixi︸ ︷︷ ︸

interference signals

+Hcn.
(19)

γc,k =
P̄k

∣∣∣vHc,MRC,kHcaN (ωk)
∣∣∣2

vHc,MRC,kHcHH
c vc,MRC,k +

∑K
i=1,i̸=k P̄i

∣∣∣vHc,MRC,kHcaN (ωi)
∣∣∣2

=
P̄k

∣∣∣vHc,MRC,kaN−L+1 (ωk)
∣∣∣2

vHc,MRC,kHcHH
c vc,MRC,k/|Hc (ejωk)|2 +

∑K
i=1,i̸=k P̄i

∣∣∣∣vHc,MRC,kaN−L+1 (ωi)
Hc(ejωi)
Hc(ejωk)

∣∣∣∣2
.

(24)
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(b) L = 64

Fig. 3. Beam patterns of CBS-based MRC versus conventional MRC, where we use sin θ = ω/π to characterize the spatial angular frequency ω.

can be observed that longer filter length may cause wider main
lobe. In particular, when L→ N , the equivalent beam pattern
of the CBS-based MRC beamforming becomes consistent with
the amplitude-frequency response of the spatial filter, as shown
in Fig. 3(b). Therefore, severe IUI may occur when many users
are located in the passband of the filter. This validates the
importance of designing an appropriate filter for the CBS-
based beamforming, i.e., the trade-off between the filtering
performance and beamforming gain.

In practice, there have been numerious methods to design a
digital FIR filter, such as the Parks-McClellan Algorithm [40].
To illustrate clearly, we only use the basic Window Method to
generate a casual bandpass FIR filter based on its performance
requirements. Then, the filter coefficients are given by

h (l) =
sin [ωc2 (l −ML)]

π (l −ML)
− sin [ωc1 (l −ML)]

π (l −ML)
, (27)

where L = 2ML+1. Besides, ωc1 and ωc2 denote the low and
high cut-off frequencies, respectively. Note that the filtering
performance of (27) only depends on cut-off frequencies and
the filter’s length, which can be designed for users in advance.
This renders that the complexity of the filter design does not
need to be considered in the CBS-based beamforming.

The complexity of different linear beamforming schemes
mentioned above are listed in TABLE I, which mainly focuses
on the number of multiplications during the signal process-
ing. In particular, the computational complexity of the CBS-
based MRC beamforming includes two parts, i.e., obtaining
the resulting signal yc = Hcy and performing the MRC
beamforming for all the K users. Note that numerical values
of the above complexity analysis are provided in Section VI.
It can be observed that the complexity of the CBS-based MRC
beamforming is similar to the conventional MRC by choosing
suitable values for the filter’s length L, but it achieves superior
ability to suppress the IUI due to the spatial FIR filter. On the
other hand, compared with the ZF and MMSE, the CBS-based
MRC beamforming can significantly reduce the computational
complexity, especially when the user number K becomes very
large.

IV. CBS-BASED MMSE BEAMFORMING

In uplink multi-user communications, the MMSE beam-
forming is an optimal linear solution to maximize the SINR.
However, the computational complexity of the MMSE beam-
forming is proportional to K3, as shown in TABLE I. That is
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TABLE I
COMPLEXITY OF MRC, ZF, MMSE AND CBS-BASED MRC.

Beamforming Type Resulting Signal Complexity

MRC AHy O {KN}
ZF

(
AHA

)−1
AHy O

{
K2N +K3 +KN +K2

}
MMSE

(
AHA+ P̄−1

)−1
AHy O

{
K2N +K3 +KN +K2

}
CBS-MRC UHHcy O {(K + L) (N − L+ 1)}

to say, as the user number significantly increases, the corre-
sponding complexity will become extremely high. Fortunately,
the CBS processing can provide a new opportunity to address
this issue, since users out of the passband are negligible after
passing through the spatial FIR filter. In this case, the actual
number of users that require the MMSE beamforming can be
significantly reduced.

A. Beamforming design

Assume that the spatial FIR filter Hc

(
ejω
)

in (18) is perfect
and only Kp users are located within the passband, whose
angle set is denoted by Ωp. Let Λp ≜ {i|ωi ∈ Ωp} denote the
index set of all passband users. Therefore, the corresponding
channel matrix can be obtained as

Ap = AΦp, (28)

where Φp ∈ {0, 1}K×Kp is a transformation matrix with “1”
only appearing once in each column and in the i-th row, ∀i ∈
Λp. Besides, the transmit signal with respect to all passband
users can be expressed as xp ≜ ΦH

p x.
As such, the resulting signal after the CBS preprocessing

approximately equals to (29), shown at the top of the next
page. Similarly, we first neglect the impact of the non-white
noise during the beamforming design. Accordingly, the MMSE
beamforming matrix given by (14) can be modified as

Bc,MMSE =
(
UH
p Up + P̄−1

p

)−1
UH
p , (30)

where Up ≜ HcAp and P̄p ≜ ΦH
p P̄Φp.

Besides, the linear CBS-based MMSE beamforming vector
for user k can be expressed as

vc,MMSE,k =
ej(L−1)ωkC−1

c,kHc

(
ejωk

)
aN−L+1 (ωk)∥∥∥ej(L−1)ωkC−1

c,kHc (ejωk)aN−L+1 (ωk)
∥∥∥ ,

(31)
where

C−1
c,k = IN−L+1 − Ūp,k

(
P̄−1
p,k + ŪH

p,kŪp,k

)−1

ŪH
p,k, (32)

Ūp,k ≜ ALΦp,k, (33)

P̄p,k ≜ ΦH
p,kP̄Φp,k. (34)

Note that by using the Woodbury matrix identity [41], (32) can
be easily obtained based on the interference-plus-noise covari-
ance matrix in (15). Besides, AL denotes the first N −L+1
rows of the matrix A, and we obtain Φp,k ∈ {0, 1}K×(Kp−1)

with “1” only appearing once in each column and in the i-th
row, i ∈ Λp\k. According to (31), it can be observed that both
the user number and equivalent array dimension are reduced,
compared with the classical MMSE beamforming.

B. Array decimation

Besides the user number, the computational complexity of
the classical MMSE beamforming also depends on the array
dimension, which provides DoFs for the IUI mitigation. In
practice, it is unnecessary to use all antenna elements to
perform the MMSE [42], especially when the user number
is small. Since only Kp users remain after the CBS prepro-
cessing, the complexity can be further reduced by performing
the MMSE with a smaller array. Based on this, the resulting
vector (29) can be uniformly decimated with the interval Nd.
Hence, the decimation matrix can be obtained as

Dµ =
[
δµ, δµ+Nd

, · · · , δµ+(J−1)Nd

]T
, 0 ≤ µ ≤ Nd − 1,

(35)
where δi denotes the i-th standard orthogonal basis of the
(N − L+ 1) dimension space, µ is the starting point of the
decimation, and J ≜ ⌈N−L+1

Nd
⌉ accounts for the decimated

array length. Therefore, the decimated resulting vector can be
further expressed as (36), shown at the top of the next page.

Furthermore, the linear CBS-based MMSE beamforming
vector by applying the uniform decimation for user k in (31)
can be expressed as

vcd,MMSE,k =
ej(L−1)ωkC−1

cd,kDµHc

(
ejωk

)
aN−L+1 (ωk)∥∥∥ej(L−1)ωkC−1

cd,kDµHc (ejωk)aN−L+1 (ωk)
∥∥∥ ,

(37)
where

C−1
cd,k = IJ − Ūp,d,k

(
P̄−1
p,k + ŪH

p,d,kŪp,d,k

)−1

ŪH
p,d,k, (38)

with Ūp,d,k ≜ DµŪp,k.

C. Complexity analysis

Note that the performance of the CBS-based MMSE beam-
forming is closely related to the spatial FIR filter design. Given
the symmetry of the FIR filter, we only need to consider the
positive half space of the spatial frequency, i.e., ω ∈ [0, π]. To
obtain an optimal FIR filter for a specific user, its passband
cannot be too wide, thus rendering more interference signals
filtered. As such, a filter bank composed of several filters
with the identical passband width is needed to cover all users
in the whole space. Thus, the spatial frequency domain will
be divided into M segments, and the CBS-based MMSE
beamforming will be performed in each segment. For ease
of exposition, let us denote the user number with respect
to the m-th segment by Km. The complexity of the CBS-
based MMSE beamforming without any decimation is given
by (39), shown at the top of the next page. Specifically, both
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yc ≈ HcApxp +Hcn =
∑
i∈Λp

HcaN (ωi)
√
Pixi +Hcn

= ej(L−1)ωkHc

(
ejωk

)
aN−L+1 (ωk)

√
Pkxk︸ ︷︷ ︸

user k’s signal

+
∑

i∈Λp,i̸=k

ej(L−1)ωiHc

(
ejωi

)
aN−L+1 (ωi)

√
Pixi︸ ︷︷ ︸

interference signals

+Hcn. (29)

yc,µ = Dµyc ≈ DµHcaN (ωk)
√
Pkxk +

∑
i∈Λp,i̸=k

DµHcaN (ωi)
√
Pixi +DµHcn. (36)

O

(
L (N − L+ 1) +

M∑
m=1

[
K2
m (N − L+ 1) +K3

m +Km (N − L+ 1) +K2
m

])
. (39)

the complexity of obtaining the resulting signal yc = Hcy and
multiplications involved in the MMSE beamforming in each
segment is taken into account.

To gain more useful insights, we assume that all users
are uniformly distributed, i.e., the user number in each seg-
ment approximately equals to K/M . Based on this, both the
complexity of the CBS-based MMSE beamforming with and
without the uniform decimation is listed in TABLE II. The
corresponding numerical values are given in Section VI. For
communication scenarios with massive user access, i.e., K is
very large, it can be shown that the CBS-based MMSE beam-
forming can obviously reduce the computational complexity,
compared with the conventional ZF and MMSE. Specifically,
the complexity of the ZF or MMSE beamforming is related
to K3. However, for the CBS-based MMSE beamforming, we
only need to perform the MMSE on K/M users every time
by using the CBS technique, instead of K in classical cases.

D. Impact of noise whitening

As mentioned earlier, the MMSE beamforming is optimal
only when the white noise exists. By introducing the Toeplitz
matrix Hc, the white Gaussian noise n becomes Hcn in (18),
which is obviously no longer white. To remove the impact of
such non-white noise, we can first perform the noise whitening
on the resulting vector yc after the CBS preprocessing. By
utilizing the whitening operator Wc =

(
HcH

H
c

)−1/2 ∈
C(N−L+1)×(N−L+1) [43], the output vector after the noise
whitening is represented as

yw = Wcyc = WcHcAx+WcHcn

=

K∑
i=1

WcHcaN (ωi)
√
Pixi +WcHcn

=

K∑
i=1

ej(L−1)ωiHc

(
ejωi

)
WcaN−L+1 (ωi)

√
Pixi + nw,

(40)
where nw ≜ WcHcn ∈ CN

(
0, σ2IN−L+1

)
denotes the

equivalent Gaussian white noise. For convenience, let us define
Gc ≜ HcH

H
c , which is still a Toeplitz matrix with the first

row [g (0) , g∗ (1) , g∗ (2) , · · · , g∗ (N − L)] [32]. Moreover, its
each entry can be expressed as a convolution form, i.e.,

g (j) =
∑
l

h (l)h∗ (l − j) , 0 ≤ j ≤ N − L. (41)

Note that the Toeplitz matrix Gc can be generated by simply
shifting its first row. Therefore, the computational complex-
ity of obtaining the matrix Gc is mainly determined by
the number of multiplications between non-zero elements in
computing g (j), and thus given by O (L (L+ 1) /2). Next,
specific CBS-based beamforming schemes using the noise
whitening will be provided based on (40).

• For the CBS-based MRC beamforming with the noise
whitening, the linear beamforming vector for user k is
given by

vcw,MRC,k =
W−1

c ej(L−1)ωkHc

(
ejωk

)
aN−L+1 (ωk)∥∥W−1

c ej(L−1)ωkHc (ejωk)aN−L+1 (ωk)
∥∥ .

(42)
• For the CBS-based MMSE beamforming with the noise

whitening, the beamforming matrix is given by

Bc,MMSE,w =
(
UH
p,wUp,w + P̄−1

p

)−1
UH
p,w, (43)

where Up,w ≜ WcHcAp ∈ C(N−L+1)×Kp . Thus, the
linear beamforming vector for user k can be obtained as

vcw,MMSE,k =
bc,MMSE,w,k

∥bc,MMSE,w,k∥
, (44)

where bc,MMSE,w,k is the k-th column of BH
c,MMSE,w.

Note that since the whitening operator Wc is introduced, it
is challenging to obtain a similar form of the resulting vector
as (29). In this case, the closed-form expression for the CBS-
based MMSE beamforming vector (44) is not derived here.
Besides, due to the special structure of the Toeplitz matrix
Wc, the complexity of computing its matrix inversion can
be reduced to (N − L+ 1)

2, instead of (N − L+ 1)
3 [44].

However, calculating the matrix Wc still requires at least
L (L+ 1) /2 + (N − L+ 1)

2 multiplications, which yields
that the noise whitening may cause huge additional compu-
tational complexity.
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TABLE II
COMPLEXITY OF CBS-BASED MMSE BEAMFORMING.

Beamforming Type Complexity

CBS-MMSE (no decimation) O
{
L (N − L+ 1) +M

[(
K
M

)2
(N − L+ 1) +

(
K
M

)3
+

(
K
M

)
(N − L+ 1) +

(
K
M

)2
]}

CBS-MMSE (decimation) O
{
L (N − L+ 1) +M

[(
K
M

)2
N−L+1

Nd
+

(
K
M

)3
+

(
K
M

)
N−L+1

Nd
+

(
K
M

)2
]}

V. EXTENSION TO THE NEAR-FIELD CASE

The CBS-based beamforming technique essentially uses L−
1 DoFs for filtering the partial IUI and the remaining N−L+1
DoFs are used for the beamforming design. Since L ≤ N ,
both the spatial filter and beamforming designs depend on
the array size N . Specifically, larger array size may result in
better performance of the IUI suppression by using the CBS-
based beamforming. However, as the array size significantly
increases, the conventional far-field UPW model may become
invalid and the more accurate near-field spherical model needs
to be taken into account. In this section, the spatial filter design
and performance analysis of the CBS-based beamforming will
be extended to the near-field case.

A. Near-field CBS preprocessing

To gain more useful insights, the USW model is considered
for the near-field modeling, i.e., the amplitude variation across
array elements is negligible [16]. Thus, the near-field array
response vector for user i is given by

[aN (ri, θi)]n =

√
β0
ri

e−j
2π
λ rie

j 2π
λ

(
nd sin θi−

n2d2 cos2 θi
2ri

)
,

(45)
where the second-order Taylor expansion is used to approxi-
mate the phase term, i.e., ri,n ≈ ri

(
1− nεi sin θi +

1
2n

2ε2i
)
.

With the half-wavelength antenna spacing, we can also denote

ψi ≜
πλ cos2 θi

4ri
. (46)

The near-field array response vector (45) can be simplified as

[aN (ri, θi)]n =

√
β0
ri

e−j
2π
λ riejnωi−jn2ψi , (47)

which is denoted by ai (n) for convenience. Similarly, the re-
sulting signal through the CBS preprocessing can be expressed
as

ynear
c = Hc

(
K∑
i=1

aN (ri, θi)
√
Pixi + n

)
. (48)

To characterize the intensity of the user i’s signal, we define
the post-CBS vector as

si ≜ HcaN (ri, θi)

=



∑L−1
l=0 hc (l) ai

(
−Ñ + L− 1− l

)
...∑L−1

l=0 hc (l) ai

(
−Ñ +N − 2− l

)
∑L−1
l=0 hc (l) ai

(
−Ñ +N − 1− l

)

 .
(49)

where Ñ ≜ N−1
2 . By substituting (47) into (49), the p-th

element of the post-CBS vector si can be expressed as

si,p =

√
β0
ri

e−j
2π
λ ri

×
L−1∑
l=0

hc (l) e
j(−Ñ+p+L−1−l)ωi−j(−Ñ+p+L−1−l)

2
ψi ,

(50)
where p = 0, 1, · · · , N − L.

B. Spatial filter design for near-field CBS

For the near-field case, it is challenging to directly remove
the IUI based on the frequency response of the conventional
digital filter, as shown by (50). Therefore, we attempt to obtain
the filtering coefficients by performing the optimization based
on (49) and (50). Let us first denote the filtering coefficients
as a vector h = [hc(0) · · ·hc(L− 1)]

T . As such, (50) can be
further rewritten as

si,p =

√
β0
ri

e−j
2π
λ riwH

i,ph, (51)

where wi,p ∈ CL×1 is a column vector and its l-th element,
0 ≤ l ≤ L− 1, can be expressed as

wi,p,l = e−j(−Ñ+p+L−1−l)ωi+j(−Ñ+p+L−1−l)
2
ψi . (52)

To be consistent with the analysis of the far-field case, we
still use ω = π sin θ to describe the angle θ in the filter design.
The set of all users’ possible locations is thus defined as

U ≜ {(r, ω) : r ≥ 0, |ω| ≤ π} . (53)

As shown in Fig. 4, the filter’s passband can be denoted by
the set

Qp ≜ {(r, ω) : rc1 ≤ r ≤ rc2, ωc1 ≤ |ω| ≤ ωc2} , (54)

where rc1, rc2, ωc1 and ωc2 are passband cut-off values for r
and ω, respectively. Besides, we denote the transition band as

Qt ≜ {(r, ω) : rs1 ≤ r ≤ rs2, ωs1 ≤ |ω| ≤ ωs2} \ Qp, (55)

where rs1, rs2, ωs1 and ωs2 are stopband cut-off values for r
and ω, respectively. Thus, the stopband can be expressed as

Qb ≜ U \ Qp \ Qt. (56)

Note that we still design the angle’s band in a symmetrical
way, by following the conventional digital bandpass filter. For
users lying in the stopband, i.e., qi ∈ Qb, it is expected to
obtain the following result, i.e.,

∥si∥ → 0, (57)
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Fig. 4. Near-field spatial filter design for angle and distance domain.

which is equivalent to si ≈ 0. This shows that the signal
intensity of all users in the set Qb is negligible and thus
these users cannot pass the spatial filter. Therefore, to obtain
optimal filtering coefficients, the optimization problem can be
formulated as

min
h

max
qi∈Qb

∥si∥ , (58)

s.t. ∥si∥ ≥ ϵ1, qi ∈ Qp, (58a)
∥si∥ ≤ ϵ2, qi ∈ Qt, (58b)

where ϵ1 and ϵ2 are thresholds for the signal intensity of
passband and transition band users, respectively. Note that the
objective function (58) aims at removing all users within the
stopband set Qb. Besides, the constraint (58a) is to retain users
in the passband and the constraint (58b) is to characterize the
transition band of the spatial filter. However, the problem (58)
is non-convex. By introducing a slack variable t, the above
optimization problem is equivalent to

min
h,t

t, (59)

s.t. ∥si∥ ≤ t, qi ∈ Qb, (59a)
∥si∥ ≥ ϵ1, qi ∈ Qp, (59b)
∥si∥ ≤ ϵ2, qi ∈ Qt. (59c)

It can be observed that the equivalent problem (59) is sill
non-convex due to the constraint (59b). To address this issue,
we can use the SCA technique to further relax the above
optimization problem. Thus, the non-convex constraint (59b)
can be rewritten as

∥si∥2 =
β0
r2i

N−L∑
p=0

hHWi,ph ≥ ϵ21, (60)

where Wi,p ≜ wi,pw
H
i,p. By using the first-order approxima-

tion of hHWi,ph, (60) can be further relaxed as

N−L∑
p=0

hHj Wi,phj + 2Re
[
hHj Wi,p (h− hj)

]
≥ ϵ21r

2
i

β0
, (61)





r

Fig. 5. Correlation of near-field users, where sin θ = ω/π.

where hj is the output of h at the j-th iteration. Thus, the
primary problem (59) can be transformed into (62), shown at
the top of the next page. It can be observed that the current
optimization problem (62) is convex with respect to variables
h and t, and can be directly solved by using CVX tools [45].

C. Spatial filtering performance of near-field CBS

Unlike the far-field case, near-field users will be correlated
in both the angle and distance domains. To remove the IUI
efficiently, we need to set the appropriate cut-off values for r
and ω. It is worth mentioning that these cut-off values can be
obtained based on the correlation of near-field users, given by

Γ (r, θ) ≜
∣∣∣[anear

N (re, θe)]
H
anear
N (r, θ)

∣∣∣2 , (63)

where (re, θe) denotes the location of a certain user.
Fig. 5 plots the user correlation versus the distance and

angle based on (45) and (63), where the carrier frequency is
f = 3 GHz and the antenna number of the ULA is set as N =
513. The locations of two users are assumed as (re,1, θe,1) =
(40 m, π/6) and (re,2, θe,2) = (60 m, π/3), respectively. It
can be observed that near-field users are not only correlated in
the angle, but also in the distance. Besides, yellow rectangles
describe the spatial filter’s passband, where △r ≜ rc2 − rc1
and △ω ≜ ωc2 − ωc1 denote the ranges of the passband for
r and ω, respectively. Here we set △r = 20 m and △ω =
0.2π. Due to the spatial filtering effect, users lying out of the
passband will not be severely disturbed by those in the band,
thus significantly mitigating the impact of the beam splitting
in near-field multi-user communications.

To explicitly show the spatial filtering performance based
on our proposed optimization method, we only consider the
angle dimension first by fixing the distance as r0. In this case,
we have △r = 0. For user locations with r0, the spatial filter’s
passband (54) reduces to

Qp = q {ω : ωc1 ≤ |ω| ≤ ωc2} . (64)

Similarly, the transition band (55) can be simplified as

Qt = {ω : ωs1 ≤ |ω| ≤ ωs2} \ Qp. (65)
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min
h,t

t, (62)

s.t. ∥si∥ ≤ t, qi ∈ Qb, (62a)
N−L∑
p=0

hHj Wi,phj + 2Re
[
hHj Wi,p (h− hj)

]
≥ ϵ21r

2
i

β0
, qi ∈ Qp, (62b)

∥si∥ ≤ ϵ2, qi ∈ Qt. (62c)

/ 0.2  = / 0.2  =/ 0.2  = / 0.2  =

(a) Filter 1 (r0 = 40 m)

/ 0.2  = / 0.2  =/ 0.2  = / 0.2  =

(b) Filter 2 (r0 = 60 m)

Fig. 6. Near-field spatial filters based on optimization method, where we use sin θ = ω/π to characterize its angle domain.

TABLE III
PARAMETERS FOR NEAR-FIELD SPATIAL FILTER DESIGN.

N = 513, ϵ1 = 1, ϵ2 = 0.1

Filter 1 Filter 2
ωc1 0.4π ωc1 0.8π

ωc2 0.6π ωc2 π

ωs1 0.38π ωs1 0.78π

ωs2 0.42π ωs2 π

r0 40 m r0 60 m
L 470 L 450

By substituting (56), (64) and (65) into the current optimiza-
tion problem (62), we can obtain optimal filtering coefficients
h for near-field spatial filters with different L, ωc1, ωc2, ωs1
and ωs2. According to the correlation shown in Fig. 5, Table III
provides detailed parameters for two near-field spatial filters
with r0 = 40 m and r0 = 60 m, respectively. Fig. 6 plots the
Euclidean norm of the post-CBS vector, i.e., ∥s∥, versus the
angle range sin θ. It can be observed that for both filters, there
exists a significant gap between the passband and stopband,
rendering users lying in the stopband negligible. Besides, the
amplitude of the passband is flat in general, which is nearly
consistent with the amplitude-frequency response of conven-
tional digital filters. This initially validates the feasibility of
extending the CBS-based beamforming to the near-field case.

D. Near-field CBS-based beamforming

By solving the optimization problem (62), we are able
to obtain optimal filtering coefficients h and corresponding
Toeplitz matrix Hc. As such, for the near-field case, the
CBS-based MRC and MMSE beamforming matrices still own
identical forms with (20) and (30), respectively. However, due
to the introduction of the nonlinear phase by the USW model,
the linear CBS-based beamforming vector cannot be expressed
as a form of the frequency response of the digital FIR filter.
Specifically, for the CBS-based MRC beamforming, its linear
beamforming vector for user k is given by

vnear
c,MRC,k =

HcaN (rk, θk)

∥HcaN (rk, θk)∥
. (66)

Similarly, for the CBS-based MMSE beamforming, its lin-
ear beamforming vector for user k is

vnear
c,MMSE,k =

C−1
c,kHcaN (rk, θk)∥∥∥C−1
c,kHcaN (rk, θk)

∥∥∥ , (67)

where C−1
c,k is still determined by (32).

VI. NUMERICAL RESULTS

In this section, numerical results are provided to validate
our proposed CBS-based beamforming, both in the far-field
and near-field cases. Unless otherwise stated, we assume the
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Fig. 7. Sum rate versus receive SNR.

identical transmit SNR P̄ for each user. Besides, the one-
ring model is utilized to deploy scatterers in the multi-path
environment.

A. Far-field case

Fig. 7 plots the sum rates versus the receive SNR β0P̄ ,
where the antenna number at the BS is set as N = 513 and
K = 200 users are simultaneously served. We assume that
all users are uniformly distributed over the angular frequency
domain ωi ∈ [−π, π] with the equal distance ri = 200 m.
Besides, each user is corresponding to the one-ring model
with 3 randomly deployed scatterers, whose radius is set as
5 m. We compare the resulting sum rates based on the CBS-
based MRC beamforming (20), the CBS-based MMSE beam-
forming (30), the CBS-based MMSE beamforming using the
array decimation (37) with three classical linear beamforming
schemes introduced in Section III. For the spatial filter design,
the length of the bandpass FIR filter is set as L = 110 with its
passband width being △ω = π

9 . As such, the corresponding
filter bank is composed of M = 9 filters with different cut-off
frequencies, i.e., ωmc1 = (m− 1)△ω and ωmc2 = m△ω, where
m = 1, 2, · · · ,M is the filter index. It can be shown that our
proposed CBS-based beamforming schemes achieve a similar
performance with classical ones at the low receive SNR. As
the receive SNR increases, the slight performance loss can
be observed for the CBS-based MRC beamforming and CBS-
based MMSE beamforming using the array decimation, but
there still exists a significant gap between the proposed CBS-
based beamforming and the classical MRC. Furthermore, the
CBS-based MMSE beamforming with no decimation obtains
a near-optimal performance of the IUI mitigation, compared
with the conventional MMSE and ZF. This demonstrates the
effectiveness of performing the CBS preprocessing in MU-
MIMO communications .

Fig. 8 compares the complexity of our proposed CBS-based
beamforming with classical linear schemes, based on TABLE I
and TABLE II, respectively. Note that the corresponding sim-
ulation parameters are similar with those used in Fig. 7. It can
be observed that under communication scenarios with massive
user access, there is a considerable computational cost for

MRC

ZF MMSE

CBS-MRC CBS-MMSE

1dN =

2
d

M
N

 
=  
 

dN M=

Fig. 8. Complexity of different linear beamforming schemes.

classical linear schemes like the MMSE and ZF. However, our
proposed CBS-based MMSE beamforming can significantly
reduce the complexity at nearly the same performance level.
Moreover, by using the array decimation, the corresponding
complexity can be further lowered as expected, despite an
acceptable performance loss. Besides, it can be shown that
the CBS-based MRC beamforming and classical MRC own
similar levels of the computational complexity, but the CBS-
based MRC beamforming obviously outperforms the classical
one and meanwhile approaches the performance of the optimal
scheme. Thus, the CBS-based MRC beamforming acheieves a
better trade-off between the complexity and performance.

Fig. 9 shows the impact of the noise whitening on the CBS-
based beamforming, based on the parameter configuration
used in Fig. 7. For both the CBS-based MRC and CBS-
based MMSE beamforming, significant performance degra-
dation can be noticed. In particular, the performance of the
CBS-based MRC beamforming closely aligns with that of
the classical MRC. This can be explained by the nonlinear
power gain, which is introduced by the whitening operator
Wc. Although it can whiten the non-white noise, the IUI will
also be enlarged by multiplying with the whitening operator,
thus resulting in the unsatisfactory outcomes. Moreover, by
taking into account the additional computational complexity
brought by the whitening operator, it unveils that for the CBS-
based beamforming, the impact of the non-white noise can be
neglected in the practical CBS-based beamforming design.

B. Near-field case

Fig. 10 plots the SINR of a certain user located in the
passband versus the receive SNR β0P̄ , where the antenna
number at the BS is set as N = 513 and there are K = 100
users that the BS simultaneously serves. Similarly, we assume
that all users are uniformly distributed over the angular domain
θi ∈ [−π/2, π/2] with the equal distance ri = 40 m. Then,
each user is also corresponding to the one-ring model with
3 randomly deployed scatterers, whose radius is set as 5 m.
Note that numerical results of the CBS-based beamforming
are mainly obtained based on (66) and (67). In terms of
the near-field spatial filter design, we set the filter length



13

0 10 20 30 40 50

Receive SNR (dB)

0

200

400

600

800

1000

1200

1400

1600

1800

2000

S
um

 r
at

e 
(b

ps
/H

z)
MMSE
ZF
CBS-MMSE
CBS-MRC
CBS-MMSE with whitening noise
CBS-MRC with whitening noise
MRC

Fig. 9. Sum rate versus receive SNR by considering noise whitening.

20 25 30 35 40 45 50

Receive SNR (dB)

5

10

15

20

25

30

35

40

45

50

S
IN

R
 (

dB
)

MMSE
ZF
CBS-MMSE
CBS-MRC
MRC

Fig. 10. SINR of user i versus receive SNR in the near-field case.

as L = 420 with the passband being [0.6π, 0.8π]. It can
be observed that compared with the classical MRC, the
performance of the CBS-based MRC beamforming becomes
worse. This is because filtering coefficients h based on the
optimization problem (62) significantly amplify both the IUI
and noise. Besides, for the CBS-based MMSE beamforming,
it can achieve an excellent performance at the high receive
SNR since the enlarged IUI can be significantly mitigated by
performing the MMSE on passband users. However, due to
the enlarged noise, there still exists an about 7-dB gap by
comparison with the optimal MMSE scheme.

VII. CONCLUSIONS

This paper proposed a low-complexity CBS-based beam-
forming scheme for the IUI mitigation in MU-MIMO com-
munications. The CBS-based MRC beamforming was firstly
studied base on the far-field UPW model, including its beam-
forming design and complexity analysis. We also gained more
insights into the CBS-based MMSE beamforming, where the
complexity can be further reduced via the array decimation. In
particular, trade-offs between the performance and complexity
were clearly revealed for these two schemes. Furthermore, we
extended the CBS-based beamforming to the near-field case

by using a novel optimization-based CBS approach. Numerical
results validated our theoretical analysis and demonstrated the
effectiveness of our proposed beamforming solution.
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