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Abstract—In the fifth-generation new radio (5G NR) frequency
division duplex (FDD) massive multiple-input and multiple-
output (MIMO) systems, downlink beamforming relies on the
acquisition of downlink channel state information (CSI). Code-
book based limited feedback schemes have been proposed and
widely used in practice to recover the downlink CSI with low
communication overhead. In such schemes, the performance of
downlink beamforming is determined by the codebook design
and the codebook indicator feedback. However, limited by the
quantization quality of the codebook, directly utilizing the code-
word indicated by the feedback as the beamforming vector cannot
achieve high performance. Therefore, other feedback values, such
as channel qualification indicator (CQI), should be considered
to enhance beamforming. In this paper, we present the relation
between CQI and the optimal beamforming vectors, based on
which an empirical Bayes based intelligent tuning-free algorithm
is devised to learn the optimal beamforming vector and the
associated regularization parameter. The proposed algorithm can
handle different communication scenarios of MIMO systems,
including single stream and multiple streams data transmission
scenarios. Numerical results have shown the excellent perfor-
mance of the proposed algorithm in terms of both beamforming
vector acquisition and regularization parameter learning.

Index Terms—FDD massive MIMO, beamforming, tuning-free
algorithm, channel qualification indicator (CQI).

I. INTRODUCTION

A. Background and Challenge

RECENTLY, growing demands for higher data rates,
higher network capacity, and better quality of service

have led to the rapid development of wireless communica-
tions, particularly in the evolution of the fifth-generation (5G)
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cellular systems and beyond (e.g., 6G [1]). However, this
evolution faces several challenges, such as temporally and
spatially varying wireless communication environments, the
limited availability of radio frequency spectrum, etc [2]. As
a potential solution to these issues, massive multiple-input
multiple-output (MIMO) has gained significant attention in
academia and industry [3]. By deploying and harnessing a
large number of antennas at the base station (BS) and the
user equipment (UE), massive MIMO communication systems
can efficiently mitigate the inter-cell interference [4] and
utilize spectral resources [5] via some techniques. Hence, the
massive MIMO communication systems can complete more
complicated tasks such as channel tracking [6], optimal user
scheduling [7], and so forth.

Beamforming is one of the most crucial technologies in
massive MIMO systems [3]. By modifying the phase and
amplitude of signals during baseband processing before radio
frequency transmission, this technique directs signals toward a
certain direction and reduces power leakage in other directions.
Therefore, beamforming can mitigate multi-user interference
and gain the system capacity. In order to achieve effective
beamforming, most methods assume the accurate downlink
channel state information (CSI) at the BS [8]–[13]. In time
division duplex (TDD) systems, the channel reciprocity en-
ables recovering downlink CSI through the uplink channel
in the BS, while frequency division duplex (FDD) systems
can not achieve this recovery due to the lack of channel
reciprocity [14]. Hence, to obtain downlink CSI and reduce
significant communication overhead from direct downlink
CSI transmission, the existing 5G new radio (NR) standard
proposes codebook based limited feedback schemes to encode
and transmit downlink CSI in FDD systems.

In the context of the limited feedback scheme [15], a shared
codebook is employed by both the BS and UE. Once the UE
has estimated the downlink CSI, this codebook is utilized to
encode the CSI into some bits. The significance of this process
lies in its ability to reduce the communication overhead, as
only these bits are fed back to the BS instead of the complete
original CSI. However, such information compression leads to
difficulty in recovering CSI at the BS. In addition, due to the
requirement of synchronous multiple data stream transmission
in practice, the difficulty of recovering CSI will be further
magnified. Therefore, the primary focus of this paper is to
address these challenges in obtaining high-quality CSI with
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limited feedback bits. The recovered CSI will, in turn, be
harnessed to achieve high-performance beamforming.

B. Related Works
Two kinds of techniques are actively studied for commu-

nication systems: adaptive beamforming and codebook-based
beamforming [16].

Adaptive Beamforming : Adaptive beamforming is a tech-
nique where the BS uses physical features of the communica-
tion system, such as the angle of arrival, to recover CSI. With
this information, the BS can calculate the beam direction to
maximize the beamforming gain. Although this beamforming
technique is capable of maximizing the directive gain [17],
[18], the computational complexity and overhead of recovering
CSI make it almost infeasible for popular massive MIMO
systems. Due to a large number of antennas deployed in the
massive MIMO system, the corresponding CSI is significantly
complex, resulting in a substantial overhead of recovering
CSI [19]. The overhead also increases the beamforming setup
time, which severely hinders the application of this technology
in delay-sensitive communication networks. Nevertheless, the
immense potential of this technique for enhancing communi-
cation quality continues to attract more attention.

Codebook Based Beamforming : An alternative structured
codebook based beamforming technique was first proposed
in [20], aiming to reduce the CSI recovering overhead of
the adaptive beamforming technique. This technique utilizes a
codebook composed of multiple beamforming vectors (a.k.a.
codewords) that correspond to different beam patterns or
directions. CSI can be effectively encoded and roughly recov-
ered via these pre-defined codewords. Due to their simplicity,
low overhead, and scalability, codebook based beamforming
techniques have been widely adopted in communication stan-
dards [21]. For instance, [22] generates independent code-
words from a uniform distribution. However, such a simple
codebook design does not meet the complicated requirements
of practical communication systems. In [23], the discrete
Fourier transform (DFT) matrix is taken as the orthogonal
beamforming codebook to eliminate the efforts of searching
for the angle of departure (AoD). Such a codebook is suitable
for a two-dimensional (2D) channel environment, while the
real channel is more complicated. In [24], a codebook is
designed based on the more popular 3D MIMO channel
model. The vertical dimension codebook is first designed.
Then, combining the proposed vertical beamforming codebook
and legacy horizontal dimension beamforming codebook, a 3D
MIMO beamforming scheme is proposed. In particular, 3GPP
standard [21] defines Type I codebook, which has been widely
deployed in typical massive MIMO systems dating back to the
4G era. The payload of this codebook is low, only dozens of
bits, resulting in the existence of numerous communication
devices equipped with this codebook. Hence, it is crucial to
focus on the systems with Type I codebook.

In general, beamforming acquisition schemes rely on the
codewords indicated by the indicators (a.k.a., precoder matrix
indicator (PMI)) fed back from the UE [22]–[25]. These indi-
cated codewords are directly used to determine the beam di-
rections. However, since the finite codewords in the codebook

can not cover infinite beam directions, the performance of
these beamforming schemes is limited. To enhance codebook-
based beamforming performance, we focus on exploiting
other feedback information calculated via codebook, such as
channel qualification indicator (CQI), to adaptively compute
beamforming vectors.

C. Contributions

In this paper, we consider a FDD massive MIMO system
with Type I codebook and make the first attempt to seek
the enhanced beamforming vectors by delving deeper into the
Type I feedback information. The major contributions of this
paper are summarized as follows.
• Principled Problem Formulation. In the FDD MIMO sys-
tem with Type I codebook, beamforming performance relies
on the accuracy of CSI hidden in limited feedback values,
including PMI and CQI. This paper aims to improve the beam-
forming performance by exploiting the relation between CQIs
and the optimal beamforming vectors, established through the
downlink channel covariance matrix (DCCM). Specifically, the
eigenvectors of DCCM determine the optimal beamforming
vectors, and the CQI value is related to the eigenvalues
of DCCM. Based on this relation, we propose a principled
problem for obtaining high-performance beamforming.
• Bayesian Based Tuning-Free Algorithm. The proposed
beamforming estimation problem involves adopting a regular-
ization scheme to adjust the parameters related to the unknown
eigenvalues of DCCM. However, tuning these parameters
could be time-consuming, which prompts us to develop a
tuning-free algorithm within the Bayesian learning framework
[26]. This algorithm is capable of learning the nearly optimal
regularization parameters.
• The High Performance of Proposed Algorithm for
Different Data Transmission Scenarios. This paper considers
different data transmission scenarios, including single-stream
and multi-stream scenarios. We first propose an effective
algorithm for the single-stream scenario, and then extend it to a
multi-stream algorithm by splitting the multi-stream case into
several correlated single-stream cases. Numerical results using
5G NR Type I codebook and the channel samples from QUAsi
Deterministic RadIo channel GenerAtor (QuaDRiGa)1 have
shown the significant advantage of the proposed algorithm in
terms of optimal beamforming vector acquisition.

Moreover, in the conference version [27], we mainly intro-
duce the algorithm for the single-stream scenario and omit all
proofs for the algorithm development due to the page limit.
This journal version provides all those omitted proofs and
supplies the algorithm for the multi-stream scenario.

D. Structure of This Paper and Notations

The remainder of this paper is organized as follows. In
Section II, we present the system model and introduce the
concept of beamforming. Section III elaborates on the re-
lationship between CQI and optimal beamforming vectors.

1https://quadriga-channel-model.de.
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Figure 1: Block diagram of downlink transmission and feed-
back mechanism.

The problem formulation is detailed in Section IV, followed
by the algorithm development for both single-stream and
multi-stream cases. Section V provides numerical results and
discussions, and we conclude in Section VI.

Throughout the paper, we use boldface uppercase letters,
boldface lowercase letters, and lowercase letters to respectively
denote matrices, column vectors, and numbers. The superscript
(·)H is adopted to denote the Hermitian (conjugate) transpose
matrix operator. The superscript (·)⋆ is used to indicate the
optimal solution. The set containing N elements is denoted
by {(·)n}Nn=1, where n is the index of the element. In the
context of the complex number field, the operator | · | is
defined as

√
ℜ{·}2 + ℑ{·}2, while in the real number field,

it degenerates into the absolute value operator. The complex
conjugate is represented by (·), and ∥ · ∥ denotes the 2-norm.
In addition, Tr(·), E[·], and diag(·) denote the trace, rank,
expectation, and diagonalization operators respectively.

II. SYSTEM MODEL AND BEAMFORMING

This section provides the preliminary knowledge. It splits
the communication process into two phases. Section II-A
introduces the channel state information reference signals
(CSI-RS) based limited feedback scheme, which helps the
BS to acquire downlink CSI as further achieve beamforming.
Then, we delve into the beamforming technique in the second
phase, as discussed in Section II-B.

It is worth noting that single-user beamforming serves as the
foundation for achieving multi-user beamforming in practical
massive MIMO systems. In the ideal scenario with an infinite
number of antennas, massive MIMO systems can achieve per-
fect spatial multiplexing of multiple users [28]. Consequently,
the multi-user beamforming scheme simply combines multiple
single-user beamforming schemes. For simplicity, we mainly
focus on the single-user case in this paper2.

A. Limited Feedback Scheme
Consider a point-to-point MIMO link consisting of a BS

with NA antennas and a UE with NU antennas, as shown in

2Despite practical limitations on the number of antennas preventing the
realization of perfect spatial multiplex, the system can mitigate interference
from multiple UEs sharing the same time-frequency resource by assigning
different weights to individual single-user beamforming.

Fig.1. At the communication round t, the downlink MIMO
channel matrix between the BS and the UE is denoted by
H(t) ∈ CNU×NA (NU ≤ NA) with the corresponding
downlink covariance matrix C(t) = H(t)HH(t) ∈ CNA×NA .
Within T consecutive communication rounds, we assume the
channel remains stationary, resulting in DCCM C = Et(C(t))
remaining unchanged.

5G NR standard [21] adopts the special channel state
information reference signals (CSI-RSs) {s(t) ∈ CNP }t to
assist acquisition of the downlink CSI at the BS, which is
stated as follows. The dimension of CSI-RS is determined by
the number of ports (also known as virtual antennas), denoted
by NP . In general, NP is smaller than NA, but more than
NU . At the t-th communication round, the BS leverages the
pilot weighting matrix Q(t) ∈ CNA×NP , which is usually
assumed to be semi-unitary (i.e., Q(t)HQ(t) = I), to match
the dimension of the BS antennas when transmitting s(t). After
transmitting the reshaped signal Q(t)s(t) ∈ CNA through the
downlink channel, the UE receives a signal modeled as

y(t) = H(t)Q(t)s(t) + z(t), (1)

where z(t) ∼ CN (0, σ2INU
) is the additive white Gaussian

noise (AWGN). By utilizing s(t), the UE can acquire the
effective downlink channel3

He(t) = H(t)Q(t), (2)

via various channel estimation algorithms [29]–[31].
In FDD systems, the UE does not directly transmit He(t)

back to the BS via the reverse link due to the huge overhead of
communication. Instead, He(t) is “encoded” into several bits
by using Type I codebook introduced by 3GPP [21]. According
to the number of data streams ND (1 ≤ ND ≤ NU ), the
system will adopt a corresponding ND-layer Type I codebook,
denoted as V = {Vm ∈ CNP×ND ;VH

mVm = I | m =
1, · · · ,M (ND)}. By exploiting this codebook, the UE com-
putes the PMI

m0(t) = argmax
m=1,··· ,M(ND)

Tr
(
VH

mHe(t)
HHe(t)Vm

)
,

= argmax
m=1,··· ,M(ND)

Tr
(
VH

mQ(t)HCQ(t)Vm

)
, (3)

and the CQI

η(t) = Tr
(
VH

m0(t)
He(t)

HHe(t)Vm0(t)

)
= Tr

(
VH

m0(t)
Q(t)HCQ(t)Vm0(t)

)
. (4)

Particularly, in single-stream case (where ND = 1), codeword
Vm is simplified as vector vm, and correspondingly the PMI
and CQI are reduced to

m0(t) = argmax
m=1,··· ,M

vH
mQ(t)HCQ(t)vm, (5)

η(t) = vH
m0(t)

Q(t)HCQ(t)vm0(t). (6)

Subsequently, PMI and CQI are fed back to the BS with
reduced overhead. This CSI transmission scheme is called the
limited feedback scheme.

3Due to the unknown pilot matrix Q(t), it is easier for the user to estimate
the effective channel H(t)Q(t) rather than the instantaneous channel H(t).
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B. Beamforming

In the typical single-user multi-stream beamforming mas-
sive MIMO model, the BS transmits signals {xi ∈ C}ND

i=1

toward the UE along ND beam directions (each corresponding
to an individual data stream), which are mathematically repre-
sented by orthogonal unit-norm beamforming vectors {wi}ND

i=1

[32]. Hence, at communication round t, the received signal at
the UE is formulated as

y(t) = H(t)Wx(t) + z(t), (7)

where

W = [w1,w2, · · · ,wND
]; (8)

x(t) = [x1(t), x2(t), · · · , xND
(t)] , (9)

and z(t) ∼ CN (0, σ2INU
) is the AWGN.

The quality of this transmission process is effectively mea-
sured by the average received signal-to-noise ratio (SNR),
since it determines the maximum achievable data rate4. With
the assumption that the transmitted signals {xi(t)}ND

i=1 have
unit power (without loss of generality), the average received
SNR is given by:

Et

[∑ND

i=1 xi(t)
HwH

i H(t)HH(t)wixi(t)

σ2

]

=Et

[∑ND

i=1

(
wH

i H(t)HH(t)wi

)
xi(t)

Hxi(t)

σ2

]

=Et

[
Tr

(
WHC(t)W

σ2

)]
=Tr

(
WHCW

σ2

)
, (10)

where C is the ground-truth DCCM, σ2 is the variance of the
AWGN, and an expectation over time is adopted to alleviate
the effects of time-varying channels [33]. Particularly, the
equation holds in (10) due to the stationary assumption of
the channel.

From (10), the SNR value is determined by the beamform-
ing vectors W. One crucial aim of beamforming is to increase
the average received SNR by optimizing beamforming vectors
[34]. This paper primarily focuses on achieving this objective.
Particularly, the optimal beamforming vectors are defined as
follows [33].

Definition 1. Given a point-to-point FDD MIMO link, the
optimal beamforming vectors {w⋆

i }
ND
i=1 maximize the average

received SNR (10) with power budget constraint, given as

W⋆ = arg max
WHW=I

Tr(WHCW), (11)

where W⋆ = [w⋆
1 w⋆

2 · · ·w⋆
NU

].

Specifically, Definition 1 indicates that {w⋆
i }

ND
i=1 corre-

sponds to the first ND principal eigenvectors of the DCCM C.
This dependence on the DCCM arises because instantaneous
channel information is unavailable to the BS. Instead, the

4In single-user multi-stream cases, all streams are transmitted towards the
same user, resulting in no interference among them.

BS can only obtain downlink channel covariance information
from PMI and CQI (see (3) and (4)). Nevertheless, because
the ground truth C is unknown, the BS cannot directly
compute the optimal beamforming vectors through eigen-
decomposition. Instead, the practical wireless communication
scheme directly uses weighted Type I codeword QVm0

as
the beamforming vectors. However, to minimize feedback
payload, the size of Type I codebook is intentionally restricted,
resulting in non-negligible quantization errors. These errors,
stemming from the discrete representation of beamforming
directions, significantly degrade the performance of practical
beamforming methods. Consequently, it is crucial to investi-
gate novel approaches that can leverage feedback information
to enhance beamforming performance in the presence of
quantization limitations.

In previous research [35], we have proposed to estimate
C from CQIs and PMIs. However, this approach demands a
substantial amount of feedback to mitigate estimation errors.
While it improves the quality of beamforming vectors, a lot
of feedback requirements create an unaffordable overhead in
real-world scenarios. Nevertheless, the low-rank feature of C
implies that there is no need to estimate the entire matrix.
Instead, we can directly estimate the optimal beamforming
vectors by establishing a relationship between them and the
feedback values, as elaborated in the following section.

III. THE RELATION BETWEEN CQI AND THE OPTIMAL
BEAMFORMING VECTORS

Considering the differentiation between single-stream and
multi-stream feedback schemes, this section sequentially dis-
cusses the relationship between CQI and the optimal beam-
forming vectors in these two scenarios. Further details on these
relationships are elaborated in Section III-A for the single-
stream case and Section III-B for the multi-stream case.

A. Single-stream Scenario

As pointed out in Definition 1, in the single-stream scenario,
the unit-norm optimal beamforming vector w⋆ is the first
principal eigenvector of the ground-truth DCCM C. In other
words, w⋆ is embedded in the eigen-decomposition of C with
rank NU as follows:

C = σ1w
⋆w⋆H + σ2u2u

H
2 + · · ·+ σNU

uNU
uH
NU

. (12)

Here,
{
w⋆, {uk}NU

k=2

}
, {σk}NU

k=1 (σ1 ≥ σ2 ≥ · · · ≥ σNU
)

are the eigenvectors and eigenvalues of C, respectively. By
substituting C in (6) with its eigen-decomposition (12), the
relation between w⋆ and CQI η(t) is indicated by

η(t) = vH
m0(t)

Q(t)H
(
σ1w

⋆w⋆H
)
Q(t)vm0(t) + · · ·

+ vH
m0(t)

Q(t)H
(
σNU

uNU
uH
NU

)
Q(t)vm0(t)

= |
√
σ1v

H
m0(t)

Q(t)Hw⋆|2 +
NU∑
k=2

|
√
σkv

H
m0(t)

Q(t)Huk|2,

(13)

based on which we can further conclude the following prop-
erty.
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Property 1. At the communication round t, there exists a
positive constant γ ≥ 1 such that

η(t) = vH
m0(t)

Q(t)H(γσ1w
⋆w⋆H)Q(t)vm0(t). (14)

Notice that the approximation error between η(t) and
vH
m0(t)

Q(t)H(σ1w
⋆w⋆H)Q(t)vm0(t) is proportional to γ,

which value is influenced by several factors, including the
eigenvalues of matrix C and the choice of Q(t). For example,
when the eigenvalues of C are similar, γ tends to be relatively
large. In addition, if uk lies within column space of Q(t)
(denoted by Col(Q(t))) while w⋆ does not, γ also tends to be
infinity. These issues would introduce a notable approximation
error, resulting in w⋆ not being well recovered based on the
relation indicated by Property 1.

It is worth noting that research studies, such as those
presented in [36] and [37], demonstrate significant variations
in the eigenvalues of C in real-world scenarios. Hence, to
avoid situations where γ is substantially large, we consider
tuning Q(t) such that w⋆ ∈ Col(Q(t)). The effectiveness of
such a tuning is demonstrated by the following proposition.

Proposition 1. Assuming that {w⋆, {uk}NU

k=2} are orthogonal
random variables on sphere SNA−1. At the communication
round t, if w⋆ ∈ Col(Q(t)) holds, there is

η(t) = |
√
σ1v

H
m0(t)

Q(t)Hw⋆|2 + δt, (15)

where

δt =

NU∑
k=2

σk|vH
m0(t)

Q(t)Huk|2. (16)

Regarding δt, there exist positive constants ϵ(ac) and ϵ(bm) such
that

P

(
|δt −

NU∑
k=2

σk(1− µ(ac))µ(bm)| <
NU∑
k=2

σkϵ

)

≥

(
(1−

σ2
(ac)

ϵ2(ac)
)(1−

σ2
(bm)

ϵ2(bm)

)

)NU−1

,

(17)

Here, µ(bm) = 1
NA

, σ2
(bm) = 2(NA−1)

N3
A+2NA

are the mean and
variance, respectively, of the variable |oQ(t)Huk|2, which
follows beta distribution Beta( 12 ,

NA−1
2 ). µ(ac) and σ2

(ac) are
the mean and variance of variable |vH

m0(t)
Q(t)Hw⋆|2, with

cumulative distribution function
[
I
(
1
2 ,

NP

2

)]M
(I is regular-

ized incomplete beta function). Particularly, o is orthogonal
to Q(t)Hw⋆ and their linear combination forms vm0(t). The
term ϵ is given by (1− µ(ac))ϵ(bm) + µ(bm)ϵ(ac) + ϵ(ac)ϵ(bm).

Proof. see Appendix A.

Proposition 1 characterizes the probability distribution of the
difference between matching error δt and value

∑NU

k=2 σk(1−
µ(ac))µ(bm). In typical massive MIMO systems, the value∑NU

k=2 σk(1 − µ(ac))µ(bm) approximates 0, and the difference

tends to 0 with a high probability. This implies that δt tends
to be 0, causing γ to approach 15.

Though Proposition 1 exhibits the possibility of γ → 1,
achieving the condition w⋆ ∈ Col(Q(t)) is still challenging.
This difficulty arises because the base station requires more
channel information to construct an appropriate weighting
matrix Q(t), which may not be readily available in practice.
Particularly, in the general case where w⋆ /∈ Col(Q(t)), the
impact of γ cannot be overlooked. However, this influence still
can be mitigated through a randomized pilot matrix generation
scheme based error averaging mechanism. Specifically, this
mechanism involves using multiple feedback values derived
from random pilot matrices to offset the impact of γ. Building
upon this idea and Property 1, an estimate scheme for w⋆ is
elaborated in Section IV-A.

B. Multi-stream Scenario

In the context of the multi-stream feedback scheme, the
DCCM C still links the CQI and the optimal beamforming
vectors {w⋆

i }
ND
i=1. Without loss of generality, let us assume

that the number of data streams ND is equal to the number
of user antennas NU . Consider the eigen-decomposition

C = σ1w
⋆
1w

⋆
1
H + σ2w

⋆
2w

⋆
2
H + · · ·+ σNU

w⋆
NU

w⋆
NU

H , (18)

where {σk}NU

k=1 are the eigenvalues of C. By substituting
(18) into (4), the relation between multi-stream CQI and the
optimal beamforming vectors is indicated by

η(t) = Trace

(
VH

m0(t)
Q(t)H

(
NU∑
k=1

σkw
⋆
kw

⋆
k
H

)
Q(t)Vm0(t)

)

=

NU∑
k=1

NU∑
i=1

vH
i,m0(t)

Q(t)H(σkw
⋆
kw

⋆
k
H)Q(t)vi,m0(t)︸ ︷︷ ︸

≜ηk(t)

.

(19)

which can be further decomposed into NU components, i.e.,

ηk(t) = vH
k,m0(t)

Q(t)H(σkw
⋆
kw

⋆
k
H)Q(t)vk,m0(t)

+

NU∑
i ̸=k

vH
i,m0(t)

Q(t)H(σkw
⋆
kw

⋆
k
H)Q(t)vi,m0(t),

∀k = 1, 2, · · · , NU . (20)

Estimating the individual values of {ηk(t)}NU

k=1 is chal-
lenging since only their summation, η(t), is observable at
the BS. Moreover, given the uncertain order of {σk}NU

k=1 ,
distinguishing the order of {ηk(t)}NU

k=1 is difficult as well.
In the absence of more detailed information, we resort to a
simple heuristic approach for setting the values of {ηk(t)}NU

k=1

as follows.

5Consider a situation where NA = 128, NP = 8, NU = 2 and M = 256.
Through numerical simulation, µ(ac) and σ2

(ac) can be approximated to be
0.7447 and 0.0066 respectively.Additionally, we find µ(bm) = 0.0078125

and σ2
(bm)

≈ 0.000122. It is straightforward to verify that
∑NU

k=2 σk(1 −
µ(ac))µ(bm) ≈ 2e − 3. By selecting ϵ(ac) = 0.2 and ϵ(bm) = 0.01, the
matching error δt approaches 2e − 3 with a precision of 4e − 3 with a
probability of approximately 0.748.
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Average Partition of η(t): η(t) is divided equally such that

ηk(t) =
η(t)

NU
, ∀k = 1, · · · , NU . (21)

Once {ηk(t)}NU

k=1 has been determined, based on Proposi-
tion 1 and Property 1, we can further specify the components
in (20) as follows:

ηk(t) = vH
k,m0(t)

Q(t)H(σ̂kw
⋆
kw

⋆
k
H)Q(t)vk,m0(t), (22)

where σ̂k = γσk (see γ analysis in Section III-A). It is
worth noticing that compared to the approximation errors in
the single-stream case, the errors in (22) tend to be larger,
mainly due to the imprecision of the CQI partition scheme.
Furthermore, the limited feedback scheme offers only a finite
amount of information, making it challenging to effectively
mitigate these errors.

IV. PROBLEM FORMULATION AND ALGORITHM
DEVELOPMENT

In this section, we leverage the insights presented in Section
III to model beamforming estimation problems in both single-
stream and multi-stream scenarios. Subsequently, we develop
algorithms to address these problems.

To be more specific, Section IV-A introduces the single-
stream beamforming estimation problem, which we tackle
using the algorithm detailed in Section IV-B. Furthermore, in
Section IV-C, we outline an empirical Bayes-based mechanism
for setting the regularization parameter in the single-stream
beamforming estimation problem. Finally, Section IV-D delves
into the multi-stream beamforming estimation problem and
extends the proposed single-stream algorithm to solve it.

A. Problem Formulation

Proposition 1 and Property 1 establish a connection
between CQIs and the optimal beamforming vector, which
allows for the estimation of the optimal beamforming vector.
Additionally, by collecting and exploiting CQIs {η(t)}Tt=1 and
PMIs {m0(t)}Tt=1, the influence of the approximation errors
outlined in Property 1 could be further reduced. Therefore,
at the T -th communication round, we propose to solve the
following optimization problem:

min
∥x∥=1

T∑
t=1

(
|
√
σ̂1v

H
m0(t)

Q(t)Hx| −
√
η(t)

)2
, (23)

where constraint ∥x∥ = 1 is adopted due to the unit-norm
property of w⋆.

However, the unknown value of σ̂1 in problem (23) brings
an intractable difficulty. To tackle this issue, one intuitive
scheme treats σ̂1 as another optimization variable (denoted
by σ). If this scheme is adopted, the optimal solution pair
{σ⋆,x⋆} should satisfy

|
√
σ⋆vH

m0(t)
Q(t)Hx⋆| =

√
η(t). (24)

Hence, σ⋆ can be set as

η(t)

|vH
m0(t)

Q(t)Hx⋆|2

for any given x⋆ to make (24) hold, even when x⋆ ̸=
w⋆. In other words, variable σ overfits the noise between
|
√
σ̂1v

H
m0(t)

Q(t)Hw⋆| and
√

η(t), which causes deviation
from the ground truth and further degrades the estimation
of the optimal beamforming vector. Given the shortcomings
of the above scheme, another scheme is adopted to remove
the unknown σ̂1 from problem (23) via regularization. To be
specific, by using variable substitution, i.e., w ≜

√
σ̂1x, and

then relaxing equality constraint ∥w∥ =
√
σ̂1, problem (23)

can be transformed into:

min
∥w∥≤

√
σ̂1

T∑
t=1

(
|vH

m0(t)
Q(t)Hw| −

√
η(t)

)2
. (25)

Based on duality theory [38], the constrained problem (25) can
be equivalently reformulated as the following unconstrained
optimization problem

min
w

T∑
t=1

(
|vH

m0(t)
Q(t)Hw| −

√
η(t)

)2
+ λ∥w∥2. (26)

Here, the value of the regularization parameter λ > 0 is related
to unknown σ̂1, and thus resulting in the difficulty of parameter
configuration (see Section IV-C for more discussion).

In addition, the non-convexity property of modulus terms
{|vH

m0(t)
Q(t)Hw|}Tt=1 hinders solving problem (26). Mean-

while, notice that the relation (13) remains unchanged
even with the introduction of phase rotation to the term
vH
m0(t)

Q(t)Hw⋆ due to the quadratic formulation. Inspired
by these observations, we introduce auxiliary phase rotation
variables {ϕt}Tt=1 and equivalently reformulate problem (26)
as follows:

min
w,{ϕt}T

t=1

T∑
t=1

wHQ(t)vm0(t)v
H
m0(t)

Q(t)Hw

− 2
√

η(t)ℜ{vH
m0(t)

Q(t)Hw exp(jϕt)}+ λ∥w∥2.
(27)

The equivalence between problem formulations (26) and (27)
is shown in Appendix B.

Since problem (27) involves decoupled optimization vari-
ables {w, {ϕt}Tt=1}, the alternating minimization (AM) frame-
work [38] is appropriate to be exploited for the algorithm
design.

B. Optimization via Alternating Minimization (AM)

Following the principle of AM, the decoupled variables w
and {ϕt}Tt=1 are updated alternately. More specifically, given
the initialization w0 and {ϕ0

t}Tt=1, the alternating update rule
consists of the following two steps.
1) Optimizing {ϕt}Tt=1: In the iteration τ + 1, variable w is
fixed to its latest value wτ , and thus problem (27) reduces to

max
{ϕt}T

t=1

T∑
t=1

√
η(t)ℜ{vH

m0(t)
Q(t)Hwτ exp(jϕt)}. (28)

Appendix B shows that the optimal ϕτ+1
t should satisfy

ℜ{vH
m0(t)

Q(t)Hwτ exp(jϕτ+1
t )} = |vH

m0(t)
Q(t)Hwτ |, (29)
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Algorithm 1: AM-based Beamforming Vector Estimation
Input: weighting matrix {Q(t)}Tt=1, regularization parameter
λ > 0.

Initialization: w0, {ϕ0
t}Tt=1.

For the iteration τ + 1(τ ≥ 0):
Update {ϕτ+1

t }Tt=1 via equation (31);
Update wτ+1 via equation (37);

Until Convergence.
Output: beamforming vector wT ≜ wτ+1

∥wτ+1∥ .

which implies that

exp(jϕτ+1
t ) =

(vH
m0(t)

Q(t)Hwτ )

|vH
m0(t)

Q(t)Hwτ |
. (30)

In particular, ϕτ+1
t can be specified as

ϕτ+1
t = arctan

bτt
aτt

, (31)

where

aτt = ℜ

{
vH
m0(t)

Q(t)Hwτ

|vH
m0(t)

Q(t)Hwτ |

}
; (32)

bτt = −ℑ

{
vH
m0(t)

Q(t)Hwτ

|vH
m0(t)

Q(t)Hwτ |

}
. (33)

2) Optimizing w: Similarly, after fixing {ϕτ+1
t }Tt=1, problem

(27) can be reorganized as

min
w

wHAw − 2ℜ{(bτ+1)
H
w}, (34)

where

A ≜ λI+

T∑
t=1

Q(t)vm0(t)v
H
m0(t)

Q(t)H , (35)

bτ+1 ≜
T∑

t=1

√
η(t)(exp(jϕτ+1

t ))Q(t)vm0(t). (36)

By taking the derivative of the objective function in problem
(34), it can be shown the closed-form solution of problem (34)
is [38]:

w = A−1bτ+1, (37)

which will be assigned to wτ+1.
Based on the alternating update rule consisting of (31) and

(37), the AM-based beamforming vector estimation algorithm
is summarized as Algorithm 1.
Remark 1 (Convergence Property): In particular, since the
proposed Algorithm 1 exploits the AM framework, its con-
vergence is guaranteed by the convergence theory of AM
framework [38, page 324]. In brief, the convergence theory
states that for a particular problem with several decoupling
variables, if objective functions of its subproblems are mono-
tonically decreasing (or increasing) and have a corresponding
unique minimum (or maximum), the AM based algorithm
can converge to the stationary point. It is easy to check
that problems (28) and (34) satisfy the above conditions, and
thus Algorithm 1 can converge according to the convergence
theory of AM framework.

Bayesian Model : Equivalent Bayesian Linear Regression
Model

Likelihood:

p(y|w;β) ∝ exp{−β

2
∥y −Φw∥2}, (38)

where

Φ =


exp(jϕ̂1)v

H
m0(1)

Q(1)H

exp(jϕ̂2)v
H
m0(2)

Q(2)H

...
exp(jϕ̂T )v

H
m0(T )Q(T )H

 , (39)

y = [
√

η(1),
√
η(2), · · · ,

√
η(T )]T . (40)

Prior Distribution:
w ∼ N

(
0, α−1INA

)
. (41)

C. Learning Regularization Parameter λ via Empirical Bayes

In problem (26), the regularization parameter λ balances the
shrinkage effect on w and the CQI data fit. Hence, the choice
of regularization parameter λ would affect the performance
of beamforming vector estimation in Algorithm 1. As λ is
tied to the unknown σ̂1, manual parameter tuning becomes
both time-consuming and prone to inconsistencies in acquiring
the parameter value. Instead, our proposal involves learning λ
from the received feedback data using the empirical Bayes
technique. This technique leverages the relationship between
the optimization problem (27) and a specific Bayesian model
(see Bayesian Model). Such a relation is revealed by the
following proposition.

Proposition 2. Given {ϕt = ϕ̂t}Tt=1, optimization problem
(27) is equivalent to the maximum a posterior estimation
(MAP) problem for Bayesian Model when λ = α

β , where α
and β are the precision parameters of the likelihood (38) and
prior (41), respectively.

Proof. see Appendix C.

Notice that the choice of {exp(jϕ̂t)}Tt=1 directly impacts the
values of α, β, and consequently, the performance of λ. The
optimal choice for {exp(jϕ̂t)}Tt=1 is to set them as the ground-

truth values, i.e., exp(jϕ̂t) =
(vH

m0(t)
Q(t)Hw⋆)

|vH
m0(t)

Q(t)Hw| . However, such
a choice is unachievable due to the unknown w⋆. Therefore,
an alternative scheme is to approximate w⋆ with its historical
estimation, e.g., wT−1.

Furthermore, Proposition 2 indicates the optimal λ can be
estimated as α

β when the optimal value of {α, β} in Bayesian
Model has been estimated via an empirical Bayes approach
[26, page 596-604]. Based on the marginal distribution:

p(y|α, β) =
∫

p(y|w, β)p(w|α)dw

=
( α

2π

)NA
2

(
β

2π

)T
2
∫

exp{−V (w)}dw, (42)
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Algorithm 2 : Empirical Bayes based Regularization Pa-
rameter Learning
Input: Matrix Φ and vector y.

Initialization: α0, β0.
For the iteration k (k ≥ 1):

Compute the eigenvalues µ1, · · · , µNA
of βk−1ΦHΦ;

Compute γ via equation γ =
∑NA

i=1
µi

αk−1+µi
;

Update αk via equation αk = γ
mHm

;

Update βk via equation 1
βk = 1

T−γ ∥y −Φm∥2;
Until Convergence.

Output: regularization parameter λ = αk

βk .

where

V (w) =
β

2
∥y −Φw∥2 + α

2
wHw, (43)

the optimal {α, β} estimate can be acquired by solving the
following evidence maximization problem [26]:

max
α,β

ln p(y|α, β)

= max
α,β

NA

2
lnα+

T

2
lnβ − E (m)− 1

2
ln |B| − T

2
ln(2π),

(44)

where

B = αI+ βΦHΦ, (45)

m = βB−1ΦHy, (46)

E (m) =
β

2
∥y −Φm∥2 + α

2
mHm. (47)

In particular, [39, page 167] has shown that the fixed-point
method [40] method can solve problem (44) well, which is
summarized as Algorithm 2. Hence, the optimal regularization
parameter λ can be estimated from Algorithm 2.

D. The Extension to Multi-Stream Beamforming Scenario

Section IV outlines a method designed for acquiring a
beamforming vector, tailored for enhancing the directional
transmission of a single data stream. However, current wireless
communication systems widely adopt concurrent directional
transmission of multiple data streams to bolster transmission
efficiency. In the multi-stream scenario, multiple data streams
are required to be assigned to distinct beamforming vectors,
while ensuring that these vectors are orthogonal to prevent
interference among the data streams. Consequently, in the
multi-stream context, the task shifts from estimating a single
beamforming vector to the simultaneous estimation of several
orthogonal beamforming vectors. Such a task becomes even
more intricate due to the interrelatedness among these vectors.
To tackle this challenge, we propose a sequential estimation
approach that leverages previously obtained estimates to con-
struct orthogonal constraints for subsequent estimations.

Based on the multi-stream relationship presented in Section
III-B and single-stream problem formulation in Section IV-A,

the multi-stream beamforming estimation problem is formu-
lated as follows.

min
{wk}

NU
k=1

NU∑
k=1

T∑
t=1

(
|vH

k,m0(t)
Q(t)Hwk| −

√
ηk(t)

)2
+ λk||wk||2

s.t. wH
k wk′ = 0, ∀1 ≤ k ̸= k′ ≤ NU , (48)

where wk corresponds to k-th beamforming vector. Here,
the orthogonal constraints are introduced since beamforming
vectors {w⋆

k}
NU

k=1 are orthogonal. However, these orthogonal
constraints couple variables, posing a challenge in solving
problem (48). To tackle this challenge, we propose to de-
compose problem (48) as NU subproblems and solve them
sequentially. To be specific, the k-th subproblem is given by

Pk : min
wk

T∑
t=1

(
|vH

k,m0(t)
Q(t)Hwk| −

√
ηk(t)

)2
+ λk||wk||2

s.t. wH
k Ŵk−1 = 0, (49)

where Ŵk−1 ≜ [ŵ1, ŵ2, · · · , ŵk−1] and ŵi represents the
solution of i-th subproblem Pi. Notice that subproblem P1

has no orthogonal constraints. By sequentially solving these
subproblems in ascending order of their indices, the compli-
cated synchronous estimation of multiple beamforming vectors
is simplified into several asynchronous beamforming vector
estimations. Furthermore, problem (49) can be reorganized
as an unconstrained problem by using variable substitution
wk = Bkuk as follows:

Pk : min
uk

T∑
t=1

(
|vH

k,m0(t)
Q(t)HBkuk|−

√
ηk(t)

)2
+ λk||uk||2, (50)

where uk ∈ CNA−k+1 and Bk ∈ CNA×(NA−k+1) is the basis
matrix6 of null(ŴH

k−1) satisfying

BH
k Ŵk−1 = 0; (51)

BH
k Bk = I. (52)

Particularly, problem (50) can be solved via Algorithm 1
by substituting the input parameter Q(t) with BH

k Q(t).
Meanwhile, based on the same substitution, the regularization
parameter λk can be auto-tuned via Algorithm 2. The multi-
stream beamforming algorithm sequentially solves problems
{Pk}NU

k=1, summarized as Algorithm 3.

6For a given space, its basis matrix is composed of all the independent
unit-norm basis of this space.
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Algorithm 3: Multi-Stream Beamforming Vectors Estima-
tion Algorithm with CQIs
Input: Weighting matrix {Q(t)}Tt=1, CQI {η(t)}Tt=1.

Initialization: {w0
k}

NU

k=1, {ηk(t)}NU ,T
k=1,t=1;

For the index k = 1, · · · , NU :
If k = 1:

Bk is set as I;
If k ≥ 2:

Use {wi}k−1
i=1 to compute Bk via (51) and (52);

Calculate uk by solving problem (50) with Algorithm 1
and Algorithm 2;
Compute wk via wk = Bkuk.

Output: unit-norm vectors {wk}NU

k=1.

V. NUMERICAL RESULTS

In this section, numerical results are presented to showcase
the performance of the proposed algorithms. In particular, the
real-life system independently configures beamforming vectors
for each UE. Therefore, to emulate practical configurations, we
conduct numerical experiments based on the FDD communica-
tion system consisting of a single UE with NU = 2 antennas
and a BS with NA = 32 antennas and NP = 8 ports. The
QuaDriGa platform is utilized to simulate the communication
system with the center frequency of the downlink channel
set to 1.275 GHZ. Based on the simulated communication
system, the channel covariance matrices C are computed via
the generated channel samples. Type I codebook, as specified
in 5G NR standard [21], [41], is used in the limited feedback
scheme. To ensure a fair comparison, the following algorithms
have the same feedback bit quantification. Specifically, at
each communication round, 36 feedback bits are exploited,
including 4 bits for PMI and 32 bits for CQI. Additionally,
the pilot weighting matrices {Q(t)}Tt=1 are semi-unitary and
randomly sampled from a Gaussian distribution except for
Q(1), which is selected from a pre-defined beam pattern
weighting set7.

The initialization for each algorithm is respectively shown
below. For Algorithm 1, we set ϕ0

t = 0, t = 1, 2, · · · , T , and
w0 ∼ CN (0, INA

). For Algorithm 2, the initial parameters
α0 and β0 are randomly generated from [0, 1]. In Algo-
rithm 3, there are w0

k ∼ CN (0, INA
), k = 1, · · · , NU , and

{ηk(t)}NU ,T
k=1,t=1 generated from the average partition scheme

(see Section III-B). In addition, all the numerical results are
obtained by averaging over 100 simulation trials.

The beam estimation performance is measured by the beam
precision, which is derived from the SNR formulation (see
(10)) and defined as

Tr(WHCW)

Tr(C)
, (53)

where W represents the estimated beamforming vectors and
C is the ground-truth DCCM. In particular, the beamform-
ing matrix will be reduced to a beamforming vector in the

7In beam management, the BS initiates an initial broad beam sweep by
employing pre-defined beam patterns, resulting in the generation of Q(1).
Following this, the BS conducts a more precise beam sweep using CSI-RS,
leading to the generation of subsequent Q matrices [21, 6.1.6.1].
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Figure 2: The beam precisions versus communication rounds
(single-stream).

single-stream scenario. Correspondingly, the beam precision
is reduced to

wHCw

d
, (54)

where d is the largest eigenvalue of C.
The superiority of the Bayesian-based auto-tuning mecha-

nism (i.e., Algorithm 2) is demonstrated in Figure 2. Based
on the proposed single-stream beamforming estimation al-
gorithm (i.e., Algorithm 1), the Bayesian-based auto-tuning
mechanism gives the best performance among all the constant
regularization parameters schemes except for λ = 10. In
particular, the ill-suited regularization parameters will degrade
the performance, such as λ = 0.1, 0.01, 0.001. This compari-
son highlights the superiority of the proposed Bayesian-based
auto-tuning mechanism in estimating the optimal beamforming
vector. It is worth mentioning that the performance of our
proposed Bayesian-based auto-tuning mechanism depends on
the configuration of {ϕ̂t}Tt=1, as discussed in Section IV-C.
Since we use an estimation of w⋆, rather than w⋆ itself, to
determine {ϕ̂t}Tt=1, the proposed mechanism may not always
yield the optimal penalty parameter. This explains why the
setting λ = 10 outperforms our proposed scheme.

Meanwhile, Figure 2 shows the comparison between the
proposed auto-tuning mechanism based beamforming estima-
tion algorithm and the baseline algorithm in [42] (labeled as
baseline algorithm). The baseline algorithm is widely used
by a leading global provider of information and communi-
cations technology infrastructure in typical massive MIMO
5G systems, and thus being provided as the benchmark in
this paper. In particular, the baseline algorithm estimates the
beamforming vectors at communication round t by solving

max
WHW=I

Tr

(
WH

(
1

t

t∑
i=1

η(i)Q(i)vm0(i)v
H
m0(i)

Q(i)H

)
W

)
,

(55)
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Figure 3: The objective values associated with Algorithm 1
at different values of T versus iterations.

where Q(i) = Q(1)Oi and Oi is a unitary matrix8. In the
single-stream scenario, matrix W is reduced to a vector w. In
addition, the beam precision obtained by using only the Type
I codebook directly is also taken as another benchmark to
evaluate the performance gains from the proposed algorithm.
It can be observed that the proposed algorithm outperforms the
benchmarking algorithm [42] after 10 communication rounds.
Meanwhile, as the number of communication rounds increases,
the beam precision of the proposed algorithm continues to
improve. These results show the effectiveness of the proposed
algorithm in enhancing beamforming performance.

Figure 3 illustrates the convergence of Algorithm 1. The
algorithm is employed to address problem (26) at different
given values of T . Regardless of the value of T , the objec-
tive value associated with the algorithm decreases with each
iteration, and remains almost constant after approximately
200 iterations. This phenomenon indicates that the alternating
update of variables w and {ϕt}Tt=1 could stop after 200
iterations, i.e., the algorithm converges to a stationary point.

Similarly, Figure 4 illustrates the performance of Algo-
rithm 3 with different parameter setting schemes. In the
multi-stream scenario, unlike the single-stream case, the auto-
tuning mechanism does not outperform constant parameter
schemes. In particular, the constant parameter scheme with
a fixed regularization parameter of 10, 100, 1000 brings more
performance gain for the proposed algorithm than the auto-
tuning scheme. However, the proposed auto-tuning mechanism
can make the proposed beamforming estimation algorithm
avoid poor performance caused by inappropriate regularization
parameters (e.g., 0.1, 0.01, 0.001), which do not even surpass
the benchmark line (i.e., Type I Codebook line). Furthermore,
the proposed algorithm still effectively utilizes the information
of CQIs for performance enhancement in the multi-stream
case. However, the proposed auto-tuning mechanism based

8Oi is chosen from a mutually unbiased bases (MUB) codebook, specified
in the patent [42]( https://patents.google.com/patent/WO2017206527A1/en).
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Figure 4: The beam precision versus communication rounds
when the accurate partition of CQI is unknown (multi-stream).

algorithm requires more communication rounds to surpass the
baseline algorithm compared to the single-stream case.

Notice that the inaccurate partition of multi-stream CQI
results in poor performance of the proposed algorithm shown
in Figure 4. Each component of the CQI partition serves
as a reference for estimating one eigenvector of DCCM
C. Therefore, an imprecise CQI partition directly results in
poor performance, especially when the regularization effect
is weak (i.e., when the regularization parameter is small
such as 0.1, 0.01, and 0.001 in Figure 4). Assuming the
accurate separation of multi-stream CQI is known, the perfor-
mance of the proposed multi-stream beamforming estimation
algorithm with different regularization parameters, including
the proposed auto-tuning mechanism, is shown in Figure 5.
Under this setting, the auto-tuning mechanism can provide
the more appropriate regularization parameter, which leads to
better beam precision than the constant parameter schemes.
Specifically, the auto-tuning mechanism surpasses other reg-
ularization parameter settings after about 22 communication
rounds. Meanwhile, the auto-tuning based algorithm with the
accurate separation of multi-stream CQI assumption surpasses
the benchmark algorithm at about the 22-th communication
round. In contrast, the algorithm without accurate separation
of multi-stream CQI requires more communication rounds to
surpass the benchmark, as shown in Figure 4.

Furthermore, although the proposed algorithms demonstrate
performance enhancements as illustrated in Figure 2, 4 ,5, they
cannot achieve unlimited gains in beam precision, since beam
precision is bounded by a maximum value of 1. Meanwhile.
the proposed algorithms can not reach the upper bound due
to estimation errors, which stem from quantization errors
in the codebook, approximation errors between CQI and
optimal beamforming vectors, and CQI partition errors. The
MIMO dimension plays a pivotal role in determining algorithm
performance as well. A larger MIMO dimension results in
a higher-dimensional variable, necessitating the algorithm to
estimate more parameters. Specifically, as depicted in Figure
2, the performance of our proposed algorithm exhibits notable
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Figure 5: The beam precision versus communication rounds
when the accurate partition of CQI is given (multi-stream).

variations across different antenna configurations. With an
increase in the number of antennas, a decline in performance
at each communication round becomes evident. To mitigate
this decline, additional feedback bits or communication rounds
may be necessary.
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Figure 6: The beam precisions of Algorithm 1 with different
antenna configurations.

VI. CONCLUSION

In this paper, we focus on the beamforming problem in
5G NR FDD massive MIMO systems. In particular, we
present novel beamforming algorithms for both single-stream
and multi-stream scenarios. Specifically, to enhance the per-
formance of beamforming vectors, we have leveraged the
information contained in CQIs to propose a principled beam-
forming estimation problem (see Section IV-A and Section

IV-D). By bridging the proposed problem formulation and
the Bayesian model, we propose a Bayesian learning-based
regularization scheme. By exploiting such a scheme, our
proposed algorithm can outperform the widely used approach
and enable better beamforming estimates as communication
rounds increase. Notably, this improved performance can be
observed in both single-stream and multi-stream scenarios,
showcasing the potential of leveraging CQIs to enhance the
performance of massive MIMO systems.

However, in the multi-stream scenario, the accuracy of the
CQI partition significantly affects the performance of our pro-
posed algorithm. Unfortunately, the limited feedback scheme
does not provide any multi-stream CQI partition information,
resulting in no guarantee of the accuracy of the CQI partition.
Therefore, accurate CQI partition acquisition is a promising
future research direction.
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APPENDIX

A. The Proof of Proposition 1
Given the assumption w⋆ ∈ Col(Q(t)), there are the

following lemmas.

Lemma 1. Given a semi-unitary matrix Q(t), w⋆ ∈
Col(Q(t)), and a unit-norm vector u satisfying uHw⋆ = 0,
there are

w⋆HQ(t)Q(t)Hw⋆ = 1; (56)

uHQ(t)Q(t)Hw⋆ = 0; (57)

uHQ(t)Q(t)Hu ≤ 1. (58)

Proof. Due to w⋆ ∈ Col(Q(t)), the projection of w⋆ on space
Col(Q(t)) is still itself, i.e.,

w⋆ = Q(t)(Q(t)HQ(t))−1Q(t)Hw⋆ = Q(t)Q(t)Hw⋆.
(59)

Hence, from (59), we can conclude that

w⋆HQ(t)Q(t)Hw⋆ = w⋆Hw⋆ = 1; (60)

uHQ(t)Q(t)Hw⋆ = uHw⋆ = 0. (61)

Moreover, the inequality (58) is trivial.

From the definition of PMI in (5) and the eigenvalue
decomposition of DCCM C, it can be seen that

m0(t) = arg max
m=1,··· ,M

vH
mQ(t)HCQ(t)vm

= arg max
m=1,··· ,M

|
√
σ1v

H
mQ(t)Hw⋆|2

+

NU∑
k=2

|
√
σkv

H
mQ(t)Huk|2, (62)

where {w⋆, {uk}NU

k=2}, {σk}NU

k=1 (σ1 ≥ σ2 ≥ · · · ≥ σNU
)

are the eigenvectors and eigenvalues of C, respectively. From
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(62), it is obvious that the PMI m0(t) is supposed to be chosen
from the range of [1,M ] to align vm0(t) with Q(t)Hw⋆ for
approaching the upper bound value of σ1, i.e.,

|vH
m0(t)

Q(t)Hw⋆| → 1; (63)

|vH
m0(t)

Q(t)Huk| → 0, k = 2, · · · , NU . (64)

However, due to the limited quantization quality of Type I
codebook, it is often challenging for vm0(t) to precisely align
with Q(t)Hw⋆, resulting in |vH

m0(t)
Q(t)Hw⋆| ̸= 1 and the

difficulty of bounding |vH
m0(t)

Q(t)Huk|.
To tackle this challenge, we consider the decomposition as

follows:

vm0(t) = atQ(t)Hw⋆ +

(√
1− a2t

)
o, (65)

where at = |vH
m0(t)

Q(t)Hw⋆| and unit-norm vector o is
orthogonal to Q(t)Hw⋆. By introducing this decomposition
into the term |vH

m0(t)
Q(t)Huk|, we can yield

|vH
m0(t)

Q(t)Huk|2 =
(
1− a2t

)
|oHQ(t)Huk|2,

∀k = 2, · · · , NU . (66)

In particular, equation (66) shows that the bound of
|vH

m0(t)
Q(t)Huk|2 is bounded by alignment coefficient a2t and

bias magnitude
∣∣oHQ(t)Huk

∣∣2. Though the precise values of
a2t and

∣∣oHQ(t)Huk

∣∣2 is inaccessible, their value distribution
can be obtained under the assumption that {w⋆, {uk}NU

k=2} are
orthogonal random variables on sphere SNA .

Notice that a2t can be equivalently rewritten as
max(|vH

1 Q(t)Hw⋆|2, · · · , |vH
MQ(t)Hw⋆|2), where all

terms {|vH
mQ(t)Hw⋆|2}Mm=1 are i.i.d variables. Particularly,

since w⋆ is random variable on SNA , Q(t)Hw⋆ is naturally
uniform variable on SNP . Furthermore, by changing the
coordinate system, fixed vector vm can be treated as
e ≜ (1, 0, · · · , 0) ∈ CNP . Such a transform has no affect on
statistic characteristic of Q(t)Hw⋆. According to [43], we can
conclude that |vH

mQ(t)Hw⋆|2 follows the beta distribution
Beta( 12 ,

NP

2 ). By leveraging the order statistic theory, the
cumulative distribution function of a2t is [I( 12 ,

NP

2 )]M , where
I is regularized incomplete beta function.

In addition, notice that w⋆ are orthogonal to Q(t)o and
any uk. Therefore, by leveraging the spherical symmetry
property, we can transform the coordinate system so that
Q(t)o corresponds to a random vector x on the sphere SNA−1

and uk corresponds to e1 ≜ (1, 0, · · · , 0) ∈ CNA−1. Similalry,
according to [43], |eH1 x|2, sharing the same distribution of∣∣oHQ(t)Huk

∣∣2, follows a beta distribution Beta( 12 ,
NA−1

2 ),
with mean µ(bm) =

1
NA

and variance σ2
(bm) =

2(NA−1)
N3

A+2NA
.

Therefore, based on Chebyshev’s theorem, there is

P
(∣∣a2t − µ(ac)

∣∣ < ϵ(ac)
)
= P

(∣∣(1− a2t )− (1− µ(ac))
∣∣ < ϵ(ac)

)
≥ 1−

σ2
(ac)

ϵ2(ac)
, (67)

P
(∣∣∣∣∣oHQ(t)Huk

∣∣2 − µ(bm)

∣∣∣ < ϵ(bm)

)
≥ 1−

σ2
(bm)

ϵ2(bm)

, (68)

where ϵ(ac) and ϵ(bm) are positive. By multiplying (67) and
(68), we can conclude that

P
(∣∣∣|vH

m0(t)
Q(t)Huk|2 − (1− µ(ac))µ(bm)

∣∣∣ < ϵ
)

≥ P
(∣∣(1− a2t )− (1− µ(ac))

∣∣ < ϵ(ac)
)
×

P
(∣∣∣∣∣oHQ(t)Huk

∣∣2 − µ(bm)

∣∣∣ < ϵ(bm)

)
≥

(
1−

σ2
(ac)

ϵ2(ac)

)(
1−

σ2
(bm)

ϵ2(bm)

)
, (69)

where ϵ = (1−µ(ac))ϵ(bm)+µ(bm)ϵ(ac)+ ϵ(ac)ϵ(bm). Moreover,
due to the independence between {|vH

m0(t)
Q(t)Huk|2}NU

k=2, we
can conclude that

P

(
|δ2t −

NU∑
k=2

σk(1− µ(ac))µ(bm)| <
NU∑
k=2

σkϵ

)
≥

(
(1−

σ2
(ac)

ϵ2(ac)
)(1−

σ2
(bm)

ϵ2(bm)

)

)NU−1

.

(70)

B. The equivalence of problem (26) and (27)

By expanding the square term, problem (26) can be rewrit-
ten as follows:

min
w

T∑
t=1

wHQ(t)vm0(t)v
H
m0(t)

Q(t)Hw

− 2
√
η(t)|vH

m0(t)
Q(t)Hw|+ λ∥w∥2. (71)

Therefore, we need to prove the equivalence between (71) and
(27), which can be further reorganized as

|vH
m0(t)

Q(t)Hw̃| = ℜ{vH
m0(t)

Q(t)Hw̃ exp(jϕ̃t
⋆
)}, ∀w̃,

(72)

where

ϕ̃t
⋆
= argmin

ϕt

w̃HQ(t)vm0(t)v
H
m0(t)

Q(t)Hw̃

− 2
√

η(t)ℜ{vH
m0(t)

Q(t)Hw̃ exp(jϕt)}
+ λ∥w̃∥2

= argmin
ϕt

−2
√

η(t)ℜ{vH
m0(t)

Q(t)Hw̃ exp(jϕt)}

= argmax
ϕt

ℜ{vH
m0(t)

Q(t)Hw̃︸ ︷︷ ︸
≜a

exp(jϕt)}

= argmax
ϕt

ℜ{(ℜ{a}+ jℑ{a})× (cos(ϕt) + j sin(ϕt))}

= argmax
ϕt

ℜ{a} cos(ϕt)−ℑ{a} sin(ϕt). (73)

Based on the equation (73), it can conclude that

sin(ϕ̃t
⋆
) = − ℑ{a}√

ℜ{a}2 + ℑ{a}2

cos(ϕ̃t
⋆
) =

ℜ{a}√
ℜ{a}2 + ℑ{a}2

. (74)
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Therefore, for any given w̃, it holds that

ℜ{vH
m0(t)

Q(t)Hw̃ exp(jϕt
⋆
)}

=
√
ℜ{vH

m0(t)
Q(t)Hw̃}2 + ℑ{vH

m0(t)
Q(t)Hw̃}2

= |vH
m0(t)

Q(t)Hw̃|. (75)

Based (75), the equivalence of problem (26) and (27) can
be concluded.

C. The proof of Proposition 2
Given ϕt = ϕ̂t, optimization problem (27) can be rewritten

as

min
w

T∑
t=1

(
wHQ(t)vm0(t)(exp(jϕ̂t))

× exp(jϕ̂t)v
H
m0(t)

Q(t)Hw

)

− 2ℜ


(

T∑
t=1

√
η(t)(exp(jϕ̂t))Q(t)vm0(t)

)H

w


+ λ∥w∥. (76)

By introducing y =
[√

η(1),
√
η(2), · · · ,

√
η(T )

]T
and Φ

defined by (39), problem (76) can be reformulated as

min
w

wHΦΦHw − 2ℜ{yHΦw}+ λ∥w∥2, (77)

which can be further rewritten as

min
w

∥y −Φw∥2 + λ∥w∥2. (78)

Based on Bayes’ theorem, the log posterior distribution
is proportional to the product of likelihood (38) and prior
distribution (41), that is

log p(w | y;α, β) ∝ −β

2
∥y −Φw∥2 − α

2
∥w∥2. (79)

Therefore, the maximum a posterior estimation problem can
be formulated as:

max
w

−β

2
∥y −Φw∥2 − α

2
∥w∥2. (80)

Furthermore, since the introduction of a scalar multiplier does
not change the solution, we can reformulate problem (80) as

min
w

2

β

(
β

2
∥y −Φw∥2 + α

2
∥w∥2

)
, (81)

which is equivalent to (78) if λ = α
β .
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