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Abstract

A key problem in the design of cloud radio access networksARS) is that of devising effective
baseband compression strategies for transmission onahth&ul links connecting a remote radio head
(RRH) to the managing central unit (CU). Most theoreticalrkgoon the subject implicitly assume
that the RRHs, and hence the CU, are able to perfectly red¢immersynchronization from the baseband
signals received in the uplink, and focus on the compressitime data fields. This paper instead dose not
assume a priori synchronization of RRHs and CU, and corsither problem of fronthaul compression
design at the RRHs with the aim of enhancing the performahtme and phase synchronization at the
CU. The problem is tackled by analyzing the impact of the Byogization error on the performance
of the link and by adopting information and estimation-tietiz performance metrics such as the rate-
distortion function and the Cramer-Rao bound (CRB). Thepsed algorithm is based on the Charnes-

Cooper transformation and on the Difference of Convex (D@jraach, and is shown via numerical
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results to outperform conventional solutions.

Index Terms

C-RAN, fronthaul compression, time and phase synchroozat

Eunhye Heo and Hyuncheol Park are with Department of Et&dtiEngineering, Korea Advanced Institute of Science and
Technology (KAIST), Daejeon 305-701, Korea (e-mail: hogt@kaist.ac.kr; parkhc@kaist.ac.kr).

Osvaldo Simeone is with Electrical and Computer Engingefepartment, New Jersey Institute of Technology (NJIT),
Newark, NJ, USA (e-mail: osvaldo.simeone@nijit.edu). Tharkvof O. Simeone was partially supported by U.S. NSF under
grant CCF-1525629.

May 31, 2021 DRAFT


http://arxiv.org/abs/1510.01545v1

I. INTRODUCTION

As mobile operators are faced with increasingly demandegpuirements in terms of data
rates and operational costs, the novel architecture ofdclaalio access networks (C-RANS)
has emerged as a promising solutioh [1],[2]. In a C-RAN, thediband processing of the base
stations is migrated to a central unit (CU) in the “cloud”,vibich the base station, typically
referred to an remote radio heads (RRHSs), are connectedonghtul links, which in turn may
be realized via fiber optics, microwave or mmwave techn@egBy simplifying the network
edge and by centralizing baseband processing, the C-RANtecture is expected to provide
significant benefits in energy efficiency, load balancingl ismterference management capabilities
(see review in[[2])

A key problem in C-RANSs is that of devising effective basathaompression methods in
order to cope with the limitation in the capacity of the frioatl links. Most theoretical works
on the subject implicitly assume perfect time synchromiratind channel state

information (CSI) at the RRHs and the CU (see, eld., [2][8lpwever, on the one hand,
this assumption violates the C-RAN paradigm that minimadeand processing should be
carried out at the BSs, and, on the other hand, the resultasiga neglects the additional
requirements on fronthaul processing at the RRHs that aposed by synchronization and
channel estimation. This limitation is alleviated by [5]hieh considers robust compression
in the presence of imperfect CSI, and by papers [6][7], wistidy the impact of fronthaul
compression on channel estimation. To the best of our krdy@eanalysis that account for
imperfect time synchronization are instead not available.

In this paper, we consider training-based synchronizdtorthe uplink of a C-RAN cellular
system. Specifically, we investigate the problem of optifr@ithaul compression of the training
field with the aim of enhancing the performance of time andsphaynchronization at the
CU. To this end, the effect of the synchronization error o $ignal to noise ratio (SNR) is
analyzed by adopting the Cramer-Rao bound (CRB) as the mpeaftce criterion of interest
and by accounting for compression via information theorétiols. The resulting proposed
algorithm is based on the Charnes-Cooper transformatibrari@ the Difference of Convex

(DC) approach[[10]. Numerical results show that optimizexhthaul compression that targets

May 31, 2021 DRAFT



enhanced synchronization performance outperforms coioveh solution that do not account
for the impact of synchronization errors. The rest of thegoap organized as follows. Sec. Il
introduce system model of uplink C-RAN cellular system. Emalytic study of the performance
and optimization are presented in Sec. lll: the CRBs of time phase offset estimation carried
at CU is derived in Sec. llI-A, and the analysis of impact of tynchronization error on the
effective SNR in Sec. IlI-B, and the optimization of fronth@ompression in Sec. llI-C. Finally,
the performance is evaluated through simulations to pteéssrefits of the proposed compression

scheme in Sec. IV.

1. SYSTEM MODEL

In this paper, we consider training-based synchronizdtorthe uplink of a C-RAN cellular
system. We specifically focus on the operation of a single aslillustrated in Fig. 1, and assume
that, as in current cellular implementations, the MSs mah®ver orthogonal time/frequency
resources, so that we can focus on a single active MS in a giesource block. The MS
transmits a frame consisting of a training and a data field fikter assume that the active MS
and the RRH have a single antenna. The RRH is connected to daCdJfronthaul link that can
deliver C bits per uplink sample to the CU. It is also assumed that thel RRsynchronized at
the frame level so as to be able to distinguish between ti@rigpand data fields that compose

each transmitted frame.

A. Training Phase

Assuming a flat-fading channel, the signal received at thél RIRring the training, or pilot,
field, is given as

Np—1

yp(t) = A’ " wllg(t —IT — 7) + z,(t), t € [0,N,T), (1)

I=—L+1
where A is a positive amplitude that accounts for the attenuatios tufading;# is the phase
offset, which models the effect of the channel and of the @maismatch between the oscillators
at the MS and at the RRH; accounts for the residual timing offset between MS and RRH;

T is the symbol periody,[l] is theth pilot symbol transmitted by the MSY, is the number
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MSs RRH CU

Fig. 1. Uplink communication between a number of MSs and atiRFhe RRH is connected via a finite-capacity fronthaul
link to a CU that performs baseband processing, includingissonization.

of pilot symbols;g(t) is the pulse shape, which includes the effect of the tranandt receive
filter and is assumed to be supported in the intef¥a|L — 1)T"] for some integet. > 1; and
z,(t) is the complex additive white Gaussian noise with two-sigeder spectral density,.
We assume that the RRH is able to estimate the channel adglitufor instance, by means of
automatic gain control in the presence of constant amm@itsymbols. Instead, the time offset
7 and phase offset need to be estimated from the received sighal (1).

The training sequence is generated randomly such that thbagz,[/] for [ =0,..., N, — 1
are independent and distributed @&/(0, E,,). The training sequence is known to the CU and
the random generation is assumed here for the sake of syimglithe analysis in the spirit of
Shannon’s random coding (see, e.g.) [11]). We further asghat the pilot symbols are preceded
by a cyclic prefix of duration equal toL — 1)7". This implies thatz,[—I] = z,[—l + N,] for
1 <1 < L — 1. Alternatively, as it will be discussed, the analysis beloolds as long as the
number of training symbolsV, is sufficiently larger than the support of the wavefogitt) L.

In order to potentially enhance the performance of phasetiare synchronization, we allow
the receiver to oversample the received signal at the BSansimpling period’s = 7'/ F, where
I is the oversampling factor. We assume for simplicity of gsial that a raised cosine pulse

g(t) with zero excess bandwidth (i.e., a sinc function) is usedhat the two-sided bandwidth
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is B=1/T. As aresult, setting” = 1, i.e., no oversampling, is an acceptable choice that leads
to no spectral aliasing. However, as it will be seen in Secth€ selection/” > 1 may yield

an improved performance. The resulting discrete-timeadigy(m1 + nT;) can be expressed as
the interleaving of the" polyphase sequence$|m| = y,(mT +nT), withn =0,1,..., F — 1,

see, e.g.,[[12]. Each sequengdm| can be in turn written as
yg[m] :Axp[m]@)g?ﬂ[m]—i_zg[m]a m:077N;D_17 (2)

where we have defined:[m] £ z,(mT +nTy), g2 y[m] = €’g(mT+nT,—7), and® denotes the
circular convolution. Assuming that the noisgt) is white over the bandwidth-1/27%, 1/27],

the discrete-time noise sequenggm| is an i.i.d. process with zero mean and powey/ 7.

Remark 1. Due to receive-side filtering, the noise is more properly elled as being ban-
dlimited with the same bandwidth of the signal. In this cdke,discrete-time noise is actually
correlated across time fof' > 1. Here, following many related references (see, e.g., [14]],
we instead make the simplifying assumption that the noisénige. This choice can be seen to

lead to lower bounds on the actual system performance.

B. Data Phase

The signal received during the data field of a frame can beemritin an analogous fashion
as (1), as

Ng—1

ya(t) = Ae’ " wylllg(t —IT — 7) + z(t), t € [0, N,T), 3)
I=—L+1

where z,4[l] is the lth data symbol transmitted by the MS, which is generated amntyl in a
constellation sef2, with zero mean and power,,, and N, is the number of data symbols. The
other parameters are defined as[ih (1). Moreover, dslin (1 psseme that the symbol indexed
as! = —-L +1,...,0 amount to a cyclic prefix, or thaV, is sufficiently larger than_. After
sampling at baud rate for the data field, the discrete-tigeadiis given as

Ny—1
yalm] = Ae’ " aqlllg((m — )T = 7) + zalm], m=0,...,Ng—1, (4)
I=—L+1
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where the discrete-time noise sequenggn| is an i.i.d. process with zero mean and power
No/T. Note that oversampling could be adopted also for the dal Iifie following the some
model used for the training filed, but we do not further purthie here in order to focus on

training for synchronization.

C. Fronthaul Compression

Following the C-RAN principle, compression is performedtla® RRH in order to convey
the baseband signal over the limited-capacity fronthawk to the CU. For the training field,
we assume the use of block quantizers that compressrghgholyphase sequengé|m|, with
n = 0,..,F — 1, separately for transmission over the fronthaul link. Ndtat, while joint
compression of these sequences generally leads to an iethimmpression efficiency, here
we adopt separate compression both for its lower compuataboplexity and for its analytical
tractability. Using the standard additive quantizatiorseanodel, the resulting compressed signal

for eachnth polyphase sequence can be written as
gy lm] =y, [m] +q;[m], m=0,..,N,—1, (5)

whereg,[m] indicates the quantization noise. Noiggm| is assumed, for simplicity of analysis,
to be complex Gaussian and generally correlated acrossisbest-time indexn. From the
covering lemma of rate-distortion theory [11], vector gtization schemes can be designed such
that the joint (empirical) distribution of the input and put of the quantizer satisfiesl (5), as
long as the rate is sufficiently large (see, e.g./ [11]). lrenmnore, the relationshipl(5) can be
in practice approximated by a high-dimensional ditherectarequantizers([15]. The practical
relevance of the additive-noise quantization model fotesysdesign is further validated in Sec.
IV by means of numerical results.

The covariance matriK - of the vectorgy = [q;[0], ..., ¢; [N, — 1]] is taken to be circulant in
order to facilitate its optimization in the frequency domas discussed in the next section. Due
to the separate quantization of the polyphase sequenaesjutintization noise is independent

across the index.
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Taking the Discrete Fourier Transform (DFT) 6f (5) leadshe frequency-domain signals

Yrk] = AX, k]G [k] + Z0 (k] + Qulk], k=0,..,N,— 1, (6)

p

where X, [k], G7,[k], Z}[k], and Q;[k] are obtained by taking the DFT of the sequences
{zplm]bnets {arolm] bty {20 [m]}oiy, and {g2[m]}."', respectively. Due to the lack of
spectral aliasing afforded by the chosen waveform and sagifsequency, we can writ€” ,[k] =
Gnlkle 7m0

From the mentioned covering lemma [11] (see dlso [15]), tbethaul rate required to convey
the compressed signajg = [y, ...y, '], wherey? = [§2[0], ..., [N, — 1]], from the RRH
to the CU is given by the mutual informatiafty,;y,), with vectory, being similarly defined.
However, the mutual informatior(y,;y,) depends on the joint distribution ¢f, andy, and
hence on the timing offset and phase offsei, which are not known at the RRH. Therefore,

the necessary rate of a worst-case estimatg,is- sup,,/(y,;Yy,). It can be easily calculated

that the mutual information is given by

F-1
[Kyn + Kgn
ypﬂ yp Z 10g2 |an | ) (7)

wherey, = [y;[0], ..., y, [N, — 1]]. Since the covariance matrix of the quantization nd{sg is

assumed to be circulant, by leveraging Szdigeorem([16], we can writé |(7) as

F—1Np—1
’ B, A2|GME] 2 + No/ T,
1(y,:¥,) = ZZ%( '%%(“> 8)

n=0 k=0

where Sqn k], for k = 0,..., N, — 1, indicate the eigenvalues of the matk.. We will refer to
Sqn|k] as the power spectral density (PSD) of the quantizatiorenglisn|. We observe thaf(8)
does not depend ahandr. Therefore, the required fronthaul ralg is given by the right-hand

side of [8). We will therefore impose the fronthaul capacionstraint as
1Y, ¥,) < NpC, 9)

The more general case with spectral aliasing could be hdrmleusing the analysis i [12] and is left as an open problem.
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wherel(y,;y,) is given in [8).

The compressed data signal during the data field, simildB)oc@n be written as
Jalm] = ya[m] + qalm], m =0,...,Ng— 1. (10)

where ¢;|m] indicates the quantization noise, which is assumed to béewbaussian random
variable with zero mean and variano%d. We observe that an optimized correlation for the
guantization noise on the data phase could also be desigmaiar to [5], but we leave this
aspect to future work in order to concentrate on training $gnchronization. Furthermore,
following the discussion above, the fronthaul rate reqliiee convey the compressed data signal
Yq = [0a4[0], ..., 9a[Ng — 1]}, from the RRH to the CU is given byr; = sup, 4 1(Y,;Y,), With

vectory, being similarly defined, with

|Kyd+qu|

(Y4 ¥4) = logy Ko | (11a)
g
Ny—1
< E, A2 112 + N,
=3 log, <1+ a E[j” i 0), (11b)
=0 qd

where [11b) follows from Szégtheorem as in((8) and the fronthaul capacity constraintef t

data phase is given as
1(Y4:¥4) < NaC. (12)

[1l. A NALYSIS AND OPTIMIZATION

In this section, we analyze the performance of the C-RAN esysintroduced above by
accounting for the impact of imperfect synchronizatiorthvihe aim of enabling the optimization
of fronthual quantization. We will first discuss the perf@amee of time and phase synchronization
at the CU in Section IlI-A. Then, we study the impact of symeheation errors on the SNR in

Section IlI-B. Finally, we investigate the optimizationfobnthual compression in Section IlI-C.

A. CRBs for Time and Phase Offset Estimation

The CU estimates the time and phase offsets based on the essegdrpilot signalg , produc-

ing the estimates(y,, x,) andé(yp, X,). The mean squared errors (MSESs) of these estimates can
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be bounded by the corresponding CRBs i.e., by the ineqemEtjpvxp[(%(yp,xp) —7)%] > CRB,

and Eywxp[(é(yp,xp) — 6)?] > CRBy. Note that the mentioned estimates depend on both the
training sequence, and the compressed received sigyjaland that the squared error is averaged
over the joint distribution ok, andy,. To evaluate the CRBs, we assume that the relationship
®)-(8) is satisfied for the given vector quantizer. This i for the sake of tractability and is
motivated by the covering lemma and by the results in [15]issugsed in the previous section.
The CRBs are given, respectively, as

v (i

-1

2 F—1Np—1 EIPA2k2|Gn[ H
)ZZ 57 5s M ) : (13)

n=0 k=0

and

F—1Np—1 -1
" Exp|A| |G™[K]|?
CRE, - (z > e ) - 1)

n=0 k=0
Given (8)-[6), the derivation of (13)-(114) follows from stard arguments, see, e.d.,/[17]. Note
that the boundd (13) and (14) do not depend on the phasa delayr.

B. Impact of the Synchronization Error on the SNR

Having estimated the time and phase offsetand §, the CU compensates for these offsets
the received signal (15), obtaining the discrete-time aign

N1
ya[m] = Ae?A? Z za[llg((m — )T + AT) + zq[m], m =0,...,Ng— 1, (15)

I=—L+1

where At = 7#(y,x) — 7 and A9 = §(y,x) — 0 are the synchronization errors for timing and
phase, respectively. We note that compensation of the tiiflsetaequires interpolation, which
is possible given the lack of spectral aliasing. Moreovedar the mentioned assumption on
the zero excess bandwidth wavefortt), the statistics of the (white Gaussian) noise terms are
unchanged by interpolation.

To account for the impact of the synchronization errdrs and Ad, we follow the approach

in [18], whereby the sinc waveform(t) is approximated by retaining only two sidelobes on
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10

either side. Under this approximation, we can expresk (45) a
yalm] = Azg[m]g(AT) + 25[m] + 2isi[m] + za[m], (16)

where the terms in[(16) are detailed below. First, the tetim| = Azy[m]g(AT)(e?2 — 1)
indicates additional noise caused by the estimation errgthase offsetAd. The termz;g;[m]
instead accounts for inter-symbol interference causecdhbytitne synchronization error and is
given as

l=m+3
Ziilm] = A2 " ay[llg((1— m)T + A7), (17)

l=m—3,l#m
In order to evaluate the power of the noise termisn] and z;,;[m|, we make the simplifying

assumption that the estimation errads- and A¢ are uniform distributed orj— £7ne Ama]

and On[ Aemax Aemax]

, respectively. We observe that this approximation is etqueto be in-
creasingly accurate in the regime of small synchronizagmors. Moreover, we approximate
ATmax and Afmax by means of the CRB(13) and CRB (14), respectively, by imposing the
equalities E[A7?] = CRB, and E[A#?] = CRBy,, which yields Amnax = +/12CRB, and
Afmax = v 12CRBy. Finally, we adopt the piecewise linear approximation af thised cosine

pulseg(t) proposed in[[18], whereby pulsgt) can be written as

A
g((l —m)T + A7) =~ a; x 77 (18a)
where a; = af if A >0 (18b)
and a; =aq; If AT <0, (18c)
for [ #m and
AT
g(Aﬂw(l—n'T'), (19
where we have definegl = (1 — g(Ammax/2T)) and the values of;" anda; are listed in
Table I, in which we have, = AiT —g(1—558), ¢ = o |g(1+ 57|, c3 = 2o—[g(2— 8],
€4 = Ai:r:axg (2+ ATmax) andc; = Ai:axg (3- ATmax) [18].
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11

TABLE |
COEFFICIENTS IN THE PIECEWISE LINEAR APPROXIMATION OF THE RISED COSINE PULSE

Il |fm—-—3|m-2m-1|m+1|m+2|m+3
CLZ+ 0 Cy —C9 C1 —C3 Cs
CLl_ —Csx C3 —C Co —Cy 0

To evaluate the effect of the synchronization error on théopmance, we now calculate an
effective signal to noise ratio that accounts for the preseof the estimation error for time
and phase offsets. By using the approximations discussaxkathe following approximations
are derived in the Appendix. The power of the desired sigplah] = Axzy[m|g(AT) in (A6) is

approximated as

Enra,[|salm]|?] ~ AE,, (1 - —\/12CRB,) (20)

whereE,[f(a)] denote the expectation of parameteof function f(a); the power ofz,[m] in

(@6) is similarly approximated as

Ear.a0.0,l12[m]|*] ~ A*E;,CRBy (1 - —\/1QCRBT> (1)

and the power ot;;[m] in (I7) as

A%E, a
T2

Enr s, [|2isi[m] 2] ~ CRB,, (22)

wherea = Eﬁizg’l#m\aﬂz andx, = [zq[m —3] za[m —2] zq[m—1] x4[m+1] xalm+2] z4lm+
3])T.
Using (20), [21), and_(22), we obtain the approximate effecENR expression

A’E,, (1 — -v/12CRB;)
A?E,,CRBy (1 — 2 /TICRB;) + £4°CRB, + 02, + 02,
A2

AE” CRBT—FO’Z —|—0'27

SNRy ~ (23a)

(23b)

A2EdeRBg +

where, for analytical tractability, we made the further @pgmation1 — 7%/12CRB, ~ 1. We

observe that the expressidn (23b) captures the effect ef éind phase errors by means of addi-
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12

tional noise terms in the denominator of the effective SNR. Mmark that the approximations
made in deriving[(23b) will be validated in the numericalulés by evaluating the performance of
proposed optimization schemes for fronthaul compressiahdre based on_(28b) and discussed

next.

C. Optimization of Fronthaul Compression

In the proposed design, we wish to maximize the effective JRB) under the constraints
(@) and [(12) on the fronthaul capacity, over the statisticthe quantization noises, namely over
the PSDsSq:[k] corresponding to the quantization of the training field andrahe variance

of the quantization noisegd for the data field. Accordingly, we have following optimiiat

problem:
{rgsﬁ}r?ugze SNRy (24a)
s.t. :i::iz;l log, ( Eprz\i”n[lj]\2 7 ) < N,C, (24b)
s N” log2 ( Edi2|G I+ NO) < (N —N,)C, (24c)
Son[k] >0, n=0,..,F—1, k=0,..,N, -1, (24d)
oo >0,N, >0, (24e)

where constraintd_ (Z2#4b) and (24c) correspond_to (9) and (&&pectively.
Towards solving problem(24), we first observe that the vméargd can be obtained, without
loss of optimality, by imposing the equality in constraif4¢). This is because SNf is

monotonically decreasing with respectdg while the left-hand side of(24) is monotonically
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decreasing imgd. We then have the following equivalent problem

2 —
minimize A?E, ,CRB, + A B, CRB. (25a)
SQn[k] T
F—1Np—1 EIPA2|Gn[k‘]|2—I- %
> log, (14 T = | < N,C, (25b)
n=0 k=0 Q;}[ ]
Son[k] >0, n=0,..,F—1, k=0,..,N, — 1, (25¢)

where the objective functiom_(Z5a) can be rewritten, usiig) @nd [14), as

A2E, A2Exdd/T2
Z Np_1 Esz2|G”[lc]|2 +

0 N o . < ) E Np_l EIPA%Q\G"[I@H ’
= 1 tSeplk NpTs 0 4 Squ k]

(26)

To tackle the optimization probler (25), we first define theiléary variablesu,, , = (Sg-[k]) ™,
anp 2 21/ (N,TL))? k2 B, |A2|G"[K]|?, andb,x £ E, | A]*|G"[K]|?

Cooper transformation [9], i.e., we set; = (1 + (No/Ts)unr)”!, yielding the equivalent

objective function

, and then use the Charnes-

A2E{Ed AZE-'EdC_L/T2
Np_l an k Np—l bn k : (27)
Z Zk =0 No/Ts (1 — v ) Z Zk =0 No/Ts (1 —vnp)
Algorithm 1 DC algorithm for problem[(25)
1: Initialization: i = 0 andv) =1 for n = 0,.., F — 1, k = 0,..., N, — 1
2: Obtaln{v(“r1 }nx @s a solution of the followmg convex problem
minimize (27)
Un,k
F—1Np—1
sit. > (€t + £, logy(No/Te)vns) < N,yC,
n=0 k=0
0<v,, <1, Vn,k (28)
3 Seti=i+1
4 If a convergence crlterlon is satisfied, stop; otherwise t@atep 2. Return the obtained
solution v kforn_o -1,k=0,1,..,N, - 1.

The objective function[(27) is convex with respect to theialaleswv,, , since denominator of

each term is an affine function of, ;, and the functiori/g(z) is convex ifg(x) is concave and
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positive. However, the constraift (25b) is still not conuethe variables, , forn =0, ..., F—1,
k =0,..., N, — 1. Nevertheless, it can be expressed as the sum of a concavef andonvex

function, i.e.,

B!

Np—1

<log2 (= bokUn + b + No/T.) — log, ((No /Ts)vmk)) < N,C. (29)

k=0

3
Il
o

Therefore, the Difference of Convex (DC) approach [10] carldveraged to obtain an iterative
optimization algorithm. This is done by linearizing the cawe part of[(29) at the current iterate

v(’?k, wherei is the index of the current iteration, obtaining the locaight convex upper bound

n

1085 (—bn Ve + b + No/Ts) < eyvns + 4, (30)

wheree!”, = ~b, 1/ (In(2)(No/ Ty + by i — by pv'y,)) and £}, = logy(—by vl + by + No/T)
Byl

The DC algorithm performs successive optimizations of tbavex problem obtained by
substituting the right-hand side &f (30) for the concave pa(29) until convergence. Given the
known properties of the DC algorithm [10], the proposed apph, summarized in Algorithm 1,
provides a feasible solution at every iteration and cora®tg a local minimum of problerh (25).
Moreover, since it only requires the solution of convex peafs, the algorithm has a polynomial

complexity per iteration.

IV. NUMERICAL RESULTS

In this section, we present numerical results to give irtsigfio optimal fronthaul compression
for synchronization and to validate the analysis preseimtdte previous sections. Throughout,
we setA = 0.7 and the SNR during training phase and SNR during data phasdedined as
SNR, = E,,/(No/Ts) and SNR, = E,,/(No/T), respectively.

Fig. [2 shows the inverse of the PSD of the quantization nais&,. (k] obtained from
Algorithm 1 for various values of SNRwith C' = 3 bits/sample,N = 100, N, = 16, and
F = 2. Note that the frequency axis ranges fromV,/2 to N,/2 — 1 rather than in the
interval [0, N, — 1] for convenience of illustration. Moreover, we emphasizat tty Sqn klis

a measure of the accuracy of quantization at frequéneyith £ = —N,/2,...,N,/2 — 1, so
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Fig. 2. Inverse of the PSD of the quantization noise obtaifnech Algorithm 1 versus the frequency indéxwith C' = 3
bits/sample,F' =2, A= 0.7, N = 100 and N, = 16.

that a largerl /Sqx[k] implies a more refined quantization. We first observe thatotbtemized
solution prescribes a more accurate quantization at hifyjaguencies, since these convey more
information on the time delay, as per the CRB](13), while e#igfiencies contribute in equal
manner to the estimate of the phase offset asipér (14). Mergas SNR increases, it is seen that
lower frequencies tend to be neglected by the quantizerarsémse that, for such frequencies,
we havel/Sq. (k] = 0, and hence the signals on these frequencies are not comgrasd not
transmitted to the CU.

In order to validate the advantage of the proposed desigmoweconsider the synchronization
performance under a conventional least-square joint paaddiming estimator operating on the

compressed signéf”[k:], n=0,.,F—-1k=0,.. N, — 1. The estimator is given as

~ ~

(0,7) = argmin ®(0, 7), (31)
0.7

with ®(0,7) = 32, |rk — ri(0,7)]* whererp = arg(Y"[k]X*[k])/2r and r}(0,7) = 6 —
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Fig. 3. MSE for joint phase and timing estimatidn}(31) verthes SNR, with A = 0.7, N = 100 and N,, = 16.

20

k/N,(n+ 7). We evaluate the performance of the estimdfot (31) in terfddSEs of time and

phase offsets by considering the quantization noise with bwe optimized PSD obtained from

Algorithm 1 and a white PSD that is constant across all fragies and is selected to satisfy

the from the constrainf (Z24b). The white-PSD compressitese is considered as reference as

it does not attempt to optimize quantization with the aim wfi@ncing synchronization.
Fig.[3(a) and Fid. 3(b) illustrate the MSE of the timing ancgé offset estimates, respectively,

as a function of SNRfor C' = 1 bits/sample and” = 3 bits/sample with?' = 1, A = 0.7,

N =100, and N,, = 16. In addition, we plot the MSE of the timing and phase offs¢inestes

in case ofF" = 2 in Fig.[3(c) and Fig| 3(d), respectively, under the samerpatars. We observe
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Fig. 4. SER with uncoded BPSK transmission versus SNR wiifit jphase and timing estimatioh (31}, = 2, A = 0.7,
N =100 and N, = 16.

that the proposed scheme significantly outperforms the esdronal white-PSD strategy, and
that the gain of the proposed scheme is more pronouncedrfierl&NR values. This is because
as the SNR grows, the impact of the quantization noise besanm@e relevant compared to
the channel noise. Furthermore, a larger oversamplingifactis seem to yield an improved
performance only for the proposed optimization scheme atdmith the conventional white-
PSD scheme. This is because in the latter case, the perfoentamefits of a larger number of
observation are offset by the increased fronthaul overheadth leads to a more pronounced
guantization noise.

Adopting the same estimator for time and phase offset, tiseesy performance in terms of
uncoded SER during the data phase is shown in[Fig. 4 andJFa. BHFSK and QPSK modula-
tion, respectively, versus the SNR for both training andadeids, i.e., SNR= SNR, = SNR;,

with ' =2, A= 0.7, N = 100 and N, = 16. Simulation results with perfect synchronization are
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Fig. 5. SER with uncoded QPSK transmission versus SNR witlt jphase and timing estimatiof (3%),= 2, A = 0.7,
N =100 and N, = 16.

also presented for reference. We note that, consistently the results in Fid.]5, the proposed
method is observed to outperform the conventional whitB-B&eme more significantly as the
SNR increases and as the fronthaul capa€itdecreases. For instance, it is seen in Elig. 5 that
the proposed approach has a gain of about 0.5 dBfet 5 bits/sample, of about 2 dB for
C = 3 bits/sample, and of about 10 dB f6f = 1 bits/sample at sufficiently large SNR.

Finally, we elaborate on the performance of actual quatizay adopting a standard scalar
uniform quantizer, instead of the additive quantizatiordeiaconsidered so far. In particular, we
choose the step siz&[k] of the quantizer used for frequengybased on the optimal PSB), k]

2K This relationship is justified

obtained from Algorithm 1 by using the relationstipk] =
by fact that, at high resolution, the quantization noisepigraximately uniformly distributed. As
reference, we also consider the performance of a uniformtgea in which step size is same for
all frequencies:, i.e., A[k] = A, with the same dynamic range as for the optimized quantizer.

Fig. [@ presents the MSE of the timing and phase offset estsne¢rsus SNRwith F = 2,
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Fig. 6. MSE of joint phase and timing estimation versus $NiRthe presence of scalar fronthaul quantization and jdizse
and timing estimation{31) witth" =2, C = 3, A = 0.7, N = 100 and N, = 16.

C=3,A=0.7, N =100 and N, = 16. We observe that the proposed scheme outperforms the

conventional uniform quantizer, with a gain of about 2 dBhe high SNR regime.

V. CONCLUSIONS

This paper tackles the problem of optimal fronthaul comgiceswith the aim of enhancing the
effective SNR in the presence of time and phase synchromizatrors at the CU. The proposed
algorithm optimizes the PSD of quantization noise at the RRM using the Charnes-Cooper
transformation and the DC approach, and is shown to outpertbe conventional solution
that assumes an equal quantizer at all frequencies. Numhedsults validate the analysis by
evaluating the performance of the proposed design undetigmhsynchronization algorithms
and with scalar quantization. An interesting direction fisture research is the consideration of

frequency-selective channels and of frequency synchatioiz
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APPENDIX

In this Appendix, we compute the powers of the desired siggak| and of the interference
terms z,[m| and of z;,;[m] as defined in Section IlI-B. The power of the desired signal is

approximated, usind (19), as

2

Esvallsabnll] = AEas, |aatml? (1 21| (322)
2 2

- 25, (1- Zefjar) + Zeqark)) (32b)

_ A2 o nATmaX 77 A Tmax
— A’E,, <1 I ey LS ) (320)
~ A2, (1 MATmax (32d)

d 2T

~ A’E,, (1 . —\/ﬁ) (32e)

where in [32t) we used the assumptidr ~ U[—2%e S which implies E[|Ar|] =
AT%X and E[|AT]?] = AI—g’a‘X; (32d) follows by removing higher-order terms iN7,ox Under
the assumption thaf\r,.x is small enough; and_(3Re) is a consequence of the apprdgimat
E[A72] = 4= ~ CRB,.

The power ofz,[m] is similarly approximated, using (119), as

. 2
Earaellzml’] ~ A’Earaos, [|xd[m]|2|eﬂ“ 12 (1= jar]) } (333)

2
= A’E, Earno {\e‘jM — 1 (1 — —|A |+ 2|Ar|2)} (33b)

2
~ A2, CRB <1 . TEATHATH + —EAT[|AT|2]) (33c)
~ A’E, CRB, (1 _ —\/12CRBT) (33d)
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where the approximation ifn_(3Bb) follows as

EA9[|6_jA9 — 1|2] =2 QEAQ[COS(AH)] (34a)
oo (a2 )
22 (1 — (Bl 2>2) (340)
= Al—z (34d)
~ CRBy, (34e)

where [(34k) follows from the Taylor series of the sinc fuantup to the second order, and (B4e)
1 1 1 A9r2nax ~
is a consequence of the approximatiBfA§?] = =22 ~ CRB;.

Finally, using [I8R), the power aof,;[m] is approximated as

A2 3
Enrz,l|zisi[m]|*] = 73 Barz, [|a"%4|*AT?] (35a)
2 —
_AE T“ En,[AT?] (35b)
A2 E,. a
a? R
B —— CRB,. (35c¢)
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